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Abstract—Active reconfigurable intelligent surface (ARIS) is
a newly emerging RIS technique that leverages radio frequency
(RF) reflection amplifiers to empower phase-configurable reflec-
tion elements (REs) in amplifying the incident signal. Thereby,
ARIS can enhance wireless communications with the strength-
ened ARIS-aided links. In this letter, we propose exploiting the
signal amplification capability of ARIS for channel estimation,
aiming to improve the estimation precision. Nevertheless, the
signal amplification inevitably introduces the thermal noise at
the ARIS, which can hinder the acquisition of accurate channel
state information (CSI) with conventional channel estimation
methods based on passive RIS (PRIS). To address this issue, we
further investigate this ARIS-specific channel estimation problem
and propose a least-square (LS) based channel estimator, whose
performance can be further improved with the design on ARIS
reflection patterns at the channel training phase. Based on
the proposed LS channel estimator, we optimize the training
reflection patterns to minimize the channel estimation error
variance. Extensive simulation results show that our proposed
design can achieve accurate channel estimation in the presence
of the ARIS noises.

Index Terms—Active reconfigurable intelligent surface (ARIS),
channel estimation, reflection design, least squares.

I. INTRODUCTION

Reconfigurable intelligent surface (RIS), which enables a
smart wireless environment, has drawn significant attention as
a promising technology for future wireless communications
[1]-[3]. In particular, RIS consists of massive cost-effective
reflection elements (REs), each of which can adjust the ampli-
tude and phase of the incident signal. By properly designing
the reflection pattern formed with the reflection coefficients
of the REs, the RIS can enhance the desired signals and/or
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suppress the undesired interference at the destinations, leading
to the increased spectral and energy efficiency.

Currently, most existing studies focus on wireless com-
munications aided with the passive RIS (PRIS) whose REs
reconfigure the incident signal only with phase adjustments.
The phase adjustments enable the PRIS to offer an outstanding
performance gain when the direct links between communica-
tion nodes are blocked [4]. However, for the general cases
where there already exist the direct links, the performance gain
provided by the PRIS is moderate, since the strength of the
PRIS-aided link is much weaker than that of the direct link due
to the multiplicative fading problem [5]. Recently, active RIS
(ARIS) has been proposed to overcome the severe multiplica-
tive fading of the PRIS [6]. In particular, the REs deployed at
the ARIS are connected with not only phase shifters but also
radio frequency (RF) reflection amplifiers, and therefore the
ARIS is able to adjust the phases as well as to amplify the
amplitude of the reflected signal. The strengthened ARIS-aided
links are consequently expected for wireless communications
[6]-[8]. In [7], it is shown that under the same power budget,
the ARIS exploits less REs but offers more achievable rate
gains than the PRIS does. In [8], the superiority of ARIS is
also presented in secure communications, since the ARIS leads
to a higher secrecy performance gain compared with the PRIS.
Moreover, the signal amplification capability of the ARIS can
also be effectively leveraged in channel estimation, which is
capable to improve the estimation precision.

Nevertheless, while the reflection amplifiers at the ARIS can
enhance the desired incoming signal, they also amplify the
thermal noise generated within the ARIS itself. Consequently,
the received noise comprises both the thermal noise at the
receiver and the amplified noise from the ARIS, which can
have a potential impact on the precision of channel estimation.
One of the critical issues to acquire the accurate CSI by
channel estimation is to find a suitable training reflection
pattern design for the ARIS [9]-[13]. For the conventional
PRIS, the training design based on the discrete Fourier trans-
form (DFT) matrix can be adopted for channel estimation,
which can achieve the minimum estimation variance [10],
[11]. Channel estimation can also be developed based on
the Hadamard matrix training design, which only requires
two discrete phase-shifts for the PRIS [12]. However, the
conventional PRIS-based channel estimation methods and the
training reflection pattern designs cannot be directly applied
to the ARIS-related channel estimation, since these designs
do not take into account the amplification ability of the
ARIS. Besides, the thermal noises introduced by the reflection
amplifiers make it more challenging to acquire accurate CSI.
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Fig. 1: Model of an ARIS-aided system.

In this letter, we leverage the signal amplification ability of
the ARIS to address the channel estimation problem. To do
so, we propose a least-square (LS) based channel estimator
and optimize the training reflection patterns of the ARIS.
Specifically, the estimation error variance is minimized in the
presence of the ARIS-related noises. By exploiting the prior
knowledge of the ARIS-receiver channel and the structure of
the DFT matrix, we simplify the problem into optimizing
a single amplification factor. Moreover, we derive the esti-
mation variance in closed form with our proposed training
reflection pattern design. Simulation results demonstrate that
our proposed design achieves accurate channel estimation in
the presence of ARIS noises and outperforms conventional
channel estimation methods.

II. SYSTEM MODEL

As shown in Fig. 1, we consider an ARIS-aided wireless
communication system, which consists of a single-antenna
UE, an ARIS with M REs, and a multi-antenna BS with K
antennas. Time division duplex (TDD) is adopted for the con-
sidered communication system, and thus channel reciprocity
is assumed such that the CSI of the downlink channel can be
obtained at the BS via the uplink channel training. During the
training phase, the UE transmits the pilot signals to the BS.
The ARIS is configured with time-varying training reflection
patterns in each training slot. Finally, the BS receives the pilot
signals through the direct link and the ARIS-aided link. BS
then can perform channel estimation based on the received
pilot signals.

A. Signal Model

Denote by ¢, = [Pn.1, s Py ooy Onm] T € CM*1 the
training reflection pattern of the ARIS in the n-th training
slot, where ¢, ,, is the reflection coefficient of the m-th RE
at the ARIS. Specifically, the reflection coefficient of the m-
th RE can be written as ¢,, ,, = an_,mej(’"’"z where a,, ,, and
0..m are the amplitude and the phase of ¢y, »,,, respectively.
In addition to the phase shifter, each RE in the ARIS is
also integrated with an RF reflection amplifier to amplify the
incident signal [14]. Thus, the amplitude a,, ,, can be larger
than 1. We consider that the amplitude and the phase of ¢y, »,
can be continuously controlled with ay, ., € (0, amax] and
On.m € (0,27], respectively, where amax > 1 is the maximum
amplitude that the RF reflection amplifier can support.

The block fading channel model is assumed, which means
the channels keep constant in each coherence block. Denote
by hy = [hd,h ---7hd,k7 ...,hd_’K]T S (CKXl, b € (CIMXI, and

gr € CMX1 the direct-link channel from the UE to the BS,
the forward-link channel from the UE to the ARIS, and the
backward-link channel from the ARIS to the k-th antenna
of the BS, respectively, where hqj is the channel response
from the UE to the k-th antenna of the BS. Since the BS and
the ARIS are generally deployed at the fixed locations with
line-of-sight (LoS) channel, we assume that the backward-link
channel gy, Vk can be known in prior with the help of the
location information at the BS. During the n-th training slot,
the received signal at the k-th antenna of BS is given by

y(n) =/ Prha s(n) + f1 Gy (v/Prbs(n)+u(n)) +2:(n)

ha.k

b Prs(n)+ ¢l Gru(n)+zp(n), (1)

=[1 oG] [

where Pr is the transmit power of the UE, s(n) is the pilot
signal with [s(n)]?> = 1, Gy = diag(gx) is the backward-
link channel of the k-th BS antenna, u(n) ~ CN(0,0%1,)
and zx(n) ~ CN(0,03) are the additive white Gaussian noise
(AWGN) at the ARIS and BS, respectively. Different from
the received signal model in most studies on the conventional
PRIS, the AWGN is also introduced at the ARIS side due to
the signal amplification, which leads to an increase in channel
estimation errors.

In this model, we are interested in estimating hy and b with
N training slots. During each slot, the UE sends a pilot signal,
and the ARIS configures its training reflection pattern. After
receiving N consecutive pilot signals, the BS estimates hg
and b. Stacking the received signal at the k-th antenna across
n =1, ..., N training slots, we obtain that

Y = VvV PrS®i;hy + 7, ()

where hy, = [hqx, bT]T is the channel vector to be estimated,
ye = [yr(1),...,yx(N)]T is the received signal at the k-
th antenna, S = diag([s(1),...,s(N)]) is a diagonal matrix
of the pilot signals, zy = WYiu + z; is the equivalent
noise combining the AWGN at the BS and the ARIS with

a = [uT(1),..,uT (V)T and z; = [zx(1), ..., 2x(N)]T, and
the related matrices are given as
1 ¢iGy ¢} Gy 0
¢k = |: : 7‘Ilk = )
1 ¢NGi 0 NG

respectively. In (2), the matrix /PrS®; is known at the
BS as the observation matrix to estimate the channel vector
hj. In addition, the equivalent noise follows the distribution
as zp ~ CN(0,C,y), where C, = o?¥, Pl 4 021y is
the covariance matrix of z; which is a diagonal matrix but
not necessarily a scaled identity matrix. Note that the ARIS
training reflection patterns can affect the noise power of zy,
since the reflection amplifier also amplifies the noises at the
ARIS. Therefore, it is necessary to design the training reflec-
tion patterns to avoid excessive noise amplification during the
channel estimation processing.



B. LS-Based Estimator

To ensure that hy can be uniquely estimated, it is assumed
that N > M + 1.! Based on this assumption and the general
linear model in (2), it is straightforward to find that the LS
estimator is a minimum variance unbiased (MVU) estimator
for h;, [15]. Therefore, h;, can be estimated as

- . AT
Be = [habE| = Exye, 3)
where the LS-based estimator can be written as
1 _ -1 _
By = (efis"ciise.)  efisicil @)

Furthermore, the covariance matrix for the estimation hy can
be expressed as

1 -1
Cur = 5 (@FS7C 5@,
Pr ?

@ L
Pr

where (a) holds due to the fact that S'S = Iy and C,
is a diagonal matrix. Moreover, the BS can perform channel
estimation in (3) with each BS _antenna k. Thg\n, the direct-
link channel can be derived as hg = [hq4 1, ..., ha k)T, while
the forward-link channel can be estimated with K replicas.
To reduce the estimation variance, the forward-link channel b
can be obtained by equally combining the K replicas as

1 K
b:?;bk. (6)

_ -1
(@ (Ghwwf +odly) @) L )

As a result, the sum of the estimation variances of i’\ld and b
is given as
¢ =E [|ha — hal?] + E[|Ib - b?]
K 1 XK
=2 _[Cniliy + 5 > (U"{Ch,k} - [Ch,kh,l) , (D)
k=1 k=1
where [Cy k]m,m denotes the m-th diagonal element of the
matrix Cy, ;. It is found that the estimation variance is related

to the covariance matrix of hy. Thereby optimizing the reflec-
tion patterns, a lower estimation variance can be expected.

III. TRAINING REFLECTION PATTERN DESIGN FOR
CHANNEL ESTIMATION

In this section, the training reflection patterns are optimized
to minimize the estimation variance for ARIS-aided systems.

A. Problem Formulation

__ The proposed LS estimator is able to simultaneously obtain

hy4 and b, and the sum of their estimation variances in (7) can
be minimized by solving the following problem

K 1K

PL: min > [Chily i+ 75 2 (1{Chi} —[Chily ,) (8a

{¢nkwk:1[ hok]1 }(2222 {Cn}—[Cnily,) (8a)

'The ARIS is proved to be more efficient in improving wireless communi-
cations using much fewer REs compared to the PRIS [6]. Hence, the required
training overhead of M + 1 can be more affordable for the ARIS.

st |Pn,m| < amax, V1, m. (8b)

Specifically, (8b) is the amplitude constraint for each RE of the
ARIS. It is challenging to solve P1 with the optimal solution
because of the non-convex objective function (8a). For the
sake of finding a feasible reflection pattern design, we leverage
a unique matrix structure that enables the product of each
training pattern and the backward-link channel to be part of
each row of the scaled DFT matrix. This approach allows for
a more efficient and practical training process, resulting in a
more effective design for the training reflection patterns.

B. Training Reflection Pattern Design

In order to show the main idea of the proposed solution, we
begin with the case that the BS is equipped with one single
antenna, i.e., K = 1. Therefore, the subscript %k is omitted for
the single-antenna case.

1) Single-Antenna Case: For the single-antenna case, the
objective of the optimization problem P1 can be degraded
into the following

P2 :{(r;}li?N tr{Cp} (9a)
s.t. (8b). (9b)

Thanks to the fact that the LS estimator is the MVU estimator
for the general linear model in (2), it can attain the CRLB,
i€, [Chlmm = [Z7'(W)]m.m, where Z(h) is the Fisher
information matrix of h. Meanwhile, there exists a lower
bound on the CRLB for each element as follows [15]

[Z7" (h)] SM+1, (10

,m=1,2 ..

>t
mm (T ()]

m,m

where the equality holds with Z~!(h) being a diagonal matrix.
This indicates that the objective (9a), which is also the CRLB
of h, can reach its lower bound with a training reflection
pattern design that enables Cy, to be a diagonal matrix.

The DFT matrix-based training reflection pattern design en-
ables the estimation covariance matrix to be a diagonal matrix
for the PRIS [10]. Inspired by that, we exploit the structure of
the DFT matrix to simplify problem P2. Specifically, denote
the first M + 1 columns of the N-point DFT matrix by
Fx ar+1, and the last M columns of the matrix Fx as41 by
F ., the rows of which are orthogonal to each other. By
letting @G being the scaled n-th row of Fy 5, we give the
structure of {¢,}n as follows

[GM¢y, - ,GMon] = BFyum, (11)

where 3 €R™ is a positive real scaling factor that is introduced
to adjust the signal amplification at the ARIS. Thereby, each

training reflection pattern is derived as

u=B(ENGT) n =12, N,

}H

12)

where fff is the n-th row of Fy »s. Based on that, we have
W&H = MBIy, which leads to the covariance matrix of
the equivalent noise C, being a scaled identity matrix. Fur-
thermore, with @"® = N diag([1, 52, ..., 5?]), the covariance
matrix for the estimation h is derived as

Cp — Moip% + o3 (<I>H‘I>)_1 '

Pr 13)



Since (®"®)~! is a diagonal matrix, the lower bound of (9a)
can be given as
1
1b _
&) =5
Therefore, the only parameter that needs to be optimized in
the reflection pattern design is the scaling factor 3. Problem
P2 can be rewritten as follows

(M (U%ﬁz + U%ﬁfQ) + MQU% + og) . (14

U |
P2-1 51161]%% e’ () (15a)
s.t. (8b), (12). (15b)

Note P2 — 1 is the optimization of one single scalar with the
convex objective function (15a). Since the LoS channel model
is considered for the backward-link channel, we can obtain the
range of 3 by substituting (12) into (8b), which is obtained as

0 < B < amaxy/Pg; (16)

where p, is the large-scale fading coefficient of the backward-
link channel. Moreover, by setting 9¢'®(8)/08 to 0, the
optimal value of 3 can be derived as

Bopt = min {amax,/pg, Z—f} .

With the substitution of the optimal 3, into (12), the training
reflection pattern design {¢,, }n is attained for the ARIS.

2) Multi-Antenna Case: With the solution to the single-
antenna case, we extend the results to the general multi-
antenna case. In particular, the training reflection patterns
{¢n}n can be firstly designed as in (12) with G replaced
by the backward-link channel related to the first BS antenna
G ;. Regarding the other BS antennas, we notice there only
exists an overall phase difference between ¢EG1 and qS,Ika,
ie., qSSGl = eiA0k qSSGk, where A@j is the overall phase
difference. Therefore, the covariance matrices as the diagonal
ones in (13) can be held for the other BS antennas, which
are free of the impact of the overall phase differences. The
covariance matrices of the estimation hy, is obtained as in (13)
with @&, = N diag([1, 52, ..., %]). With the substitution of
Ch &, Vk into (8a), the sum of the estimation variances can be
derived as

€(#)

a7

1 o3 M?0?
_ MK 2092 Y2 p-2 1
PTN( ( AP TR
Similar to P2 for the single-antenna case, P1 can also be
simplified as the optimization of 8 to minimize ¢(3) with the
constraint of 8 in (16). By setting de(8)/05 to 0, we can
derive the optimal 3 as

: o
ﬁopt = min {amax\/ Pg> K—;l} .

Finally, the training reflection patterns {¢,, } y are derived by
the substitution of (19) into (12) with the knowledge of Gj.
In particular, the training reflection pattern design requires the
knowledge of amax, pg, K, a% and a%, which can be known
or precisely measured as the prior knowledge.

Meanwhile, the estimation in (3) and (4) can be reduced as

+Ka§). (18)

19)

~ 1 -1
h, = — (®!'®,)  ®sty,,
ﬂTT( OB

where the inverse matrix can be easily derived with a closed

(20)

form as (@} @) "' = & diag([1,1/82,, -, 1/82,])- Due to
the matrix multiplication with each BS antenna, the arithmetic
cost of our proposed method is derived as O(K N log N) [10].

Furthermore, the estimation variances for the direct-link
channel and the forward-link channel on each element can

be respectively derived as

1 ~ MoiB2, + o3

a2 [Ina—ap?] - LA, g
1 ~ M02+02[30_2

e = 37E [||b - bHQ} = (Mot + 758051) IPTK;V o) (21b)

Note that the estimation variances can be decreased with more
transmit power Pr or a larger number of pilot signals N.

Remark 1. In (21), we notice the estimation variance for the
direct-link channel e4 increases as a function of [,p¢, While
that for the forward-link channel ¢, decreases by contrary.
This is because the estimation of hg is irrelevant to the
training reflection patterns of the ARIS. With larger B,p¢ and
thus more signal amplification at the ARIS, the power of the
received equivalent noise turns larger, which results in the
worse performance of the estimation of hy. As for the forward-
link channel, the estimation of b is dependent on the ARIS.
Even though the received noise is enlarged with larger Bopt,
the received signal through the ARIS-aided link is amplified
more significantly, which leads to better performance of the
estimation of b.

Based on the optimized training reflection patterns, channel
estimation based on minimum mean square error (MMSE)
can also be derived with the prior known statistics of both
the channel and noise. Moreover, in scenarios where the
backward link is not fixed and slow-varying, the BS can design
training reflection patterns with the backward-link CSI which
is estimated over a long period, and then feed the designed
patterns to the ARIS. Thereby, within a shorter period, the fast-
varying direct- and forward-link channels can be estimated by
our proposed scheme.

IV. SIMULATION RESULTS

In this section, we present the simulation results that demon-
strate the effectiveness of our proposed channel estimator,
which incorporates the proposed design for training reflection
patterns. To evaluate the performance of our approach, we
conducted simulations using square-shaped, half-wavelength-
spaced uniform planar arrays (UPAs) on both the ARIS and
the BS. The number of the REs and the number of the BS
antennas are set as M = 16 and K = 16, respectively.
The backward-link channel is modeled as [g1,...,gx] =
VPga(0:, or)a (0y, ¢r), where a(0, @) is the steering vector
dependent on the direction of (6, ¢) with 6,,0; ~ U(0, ) and
@r, pt ~ U(—F, T) being the horizontal and vertical angles of
the direction of arrival and departure, respectively. The large-
scale fading coefficient is set as p, = 1073d~2, where the
distance between the ARIS and the BS is set as d = 50
m. The direct-link and forward-link channels are modeled
as Rayleigh fading channels. The AWGN power at the BS
and ARIS are set as 07 = —70 dBm and ¢ = —80 dBm,
respectively. The conventional DFT-based scheme [10], [11]
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and the on-off scheme [13] are considered as the benchmark
schemes. In particular, the forward-link channel is derived
by the removal of the prior known backward-link channel
from the estimated cascaded-link channel. The results of mean
square errors (MSEs) are derived by 10* independent trials.

Fig. 2 depicts the MSEs of channel estimation versus the
scaling factor 5. The maximum amplitude apax iS assumed
to be sufficiently large, and thus Bop =+/02 /Koy. Since the
conventional DFT-based scheme has no optimization on the
scaling factor, its performance keeps constant with the increase
in . First, we find that the theoretical and simulated results
overlap each other with our proposed scheme. Moreover,
our proposed scheme outperforms the benchmark scheme
significantly in terms of the sum of the MSEs. When 8 = fopt,
the sum of the MSEs reaches its minimum value, which is
consistent with our analysis. Additionally, we observe that the
MSE of the estimated forward-link channel by our proposed
scheme decreases with the increase in 5. When § > —5 dB,
it converges to a value which is much lower than the MSE
by the benchmark scheme. On the contrary, with the increase
in 3, the MSE of the estimated direct-link channel by our
proposed scheme increases, which is higher than that of the
benchmark scheme. In other words, our proposed scheme can
significantly improve the performance of channel estimation
for the forward-link channel, but worsen that for the direct-
link channel. Overall, compared with the benchmark scheme,
our proposed scheme can promote the performance of channel
estimation with the optimal value of .

Fig. 3(a) depicts the sum of MSEs versus uplink transmit
power Pr under different discrete ARIS phase shifts. With our
proposed training design, the MMSE estimation can be derived
as the lower bound for channel estimation. First, we observe
that our proposed scheme outperforms the two benchmark
schemes under the same discrete phase shift. For the case with
continuous phase shifts, our proposed method, which is based
on LS, achieves almost identical performance to that of MMSE
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Fig. 4: MSE of channel estimation versus a; ...

estimation when Pr > 20 dBm. Moreover, with 2-bit discrete
phase shifts, the MSE curve by our proposed scheme levels off
once Pr exceeds 28 dBm. This is because the orthogonality
among the rows of @, is partially disrupted by discrete phase
shifts, which leads to a decline in channel estimation.

Fig. 3(b) depicts the achievable rate versus uplink transmit
power Pr. With our proposed channel estimation, the ARIS-
aided system is compared with the PRIS-aided system where
aZ,.. = 0 dB and no thermal noise is introduced at the
PRIS. With perfect and estimated CSI, the joint beamforming
vectors are optimized as [6]. The results of achievable rate
are derived with the optimized beamforming vectors. First,
the results show that the ARIS-aided system outperforms the
PRIS-aided system thanks to the signal amplification of the
ARIS. Moreover, since our proposed scheme provides more
precise channel estimation, the curves by our proposed scheme
are closer to the curve obtained with perfect CSI than those
generated by the benchmark schemes.

Fig. 4 depicts the MSE of channel estimation versus the
maximum amplitude of each reflection coefficient of the ARIS
a? ... Within the range of investigation, it is found that the
MSE for both the sum and the forward-link channel decreased
as the maximum amplitude a2, increasing, while the MSE
for the direct-link channel increases. This trend continues until
the maximum amplitude reaches a value of a2, = 48 dB,
above which all of the MSE curves plateau. This indicates
that the optimal scaling factor is no longer dependent on the
maximum amplitude a2,,.. This means that 3,p¢ achieves the
performance balance between the direct-link channel and the

forward-link channel with a2 =52 dB.

max

V. CONCLUSIONS

In this letter, we propose a LS-based channel estimator
and a training reflection pattern design for ARIS-aided wire-
less communications. The direct- and forward-link channels
are estimated with the proposed estimator. To minimize the
estimation variance, the training reflection patterns of the
ARIS are optimized under the constraint of each reflection
coefficient of the ARIS. The solution can be derived based
on the DFT matrix and the optimized scaling factor with
the prior knowledge of the ARIS-receiver channel. Simulation
results are provided to validate that our proposed scheme can
outperform the conventional one with more accurate channel
estimation.
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