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Abstract—We consider a two-user Gaussian interference chan-
nel with heterogeneous blocklength constraints (HB-GIC), strong
interference, and two private messages. We propose to apply
the successive interference cancellation with early decoding, i.e.,
decoding a message with a number of received symbols less
than the blocklength at the receiver. We determine the necessary
number of received symbols to achieve successful decoding of
the longer codeword that satisfies the input power constraints
and target average error probability constraints. To attain the
results, we investigate the dependence testing bound analysis
over an independent and identically distributed (i.i.d.) Gaussian
input. Besides, we derive the second-order achievable rate region
of the considered HB-GIC. By numerical results based on the
rate-profile approach, we compare the derived second-order rate
region to the first-order one, which shows the rate back-off of
the considered model due to the impact of finite blocklength.

I. INTRODUCTION

Ultra-reliable and low-latency communication (URLLC)
aims on providing high reliability and low latency for 5G
and related technologies, crucial in applications like intel-
ligent transportation, remote healthcare, and industrial au-
tomation [1]. Extensive research supports its aim to achieve
sub-millisecond wireless communication, enabling real-time
decision-making for scenarios like autonomous vehicles and
remote surgery. To achieve URLLC, various technologies like
forward error correction coding [2], adaptive modulation, and
interference management are essential. In practical commu-
nication scenarios that involve large-scale and high commu-
nication rate demands, such as live streaming of World Cup
matches or mobile communication networks during sudden
natural disasters, the allocation of network resources among
users with limited bandwidth needs to be considered.

The diverse user requirements for latency and service
quality have led to research in heterogeneous blocklength-
constrained networks. This idea was first studied as static
broadcasting in [3], where a broadcast channel with hetero-
geneous decoding deadlines was considered in a first-order
asymptotic setting with only a common message. Later, this
concept was extended to a network setting [4], where each
node owns some messages and requires other messages with
different decoding deadlines. The concept of joint time-rate
region therein was introduced to characterize the tradeoff
between achievable rates and decoding times. In [5], authors
consider the case where the transmitter sends two messages
at different time points, and the receiver also has different

decoding time constraints for the two messages, for a point-
to-point setting. The second-order rate analysis of Gaussian
broadcast channel (GBC) with heterogeneous blocklength
constraints has been studied in [6]–[8]. The combination of
superposition coding and early decoding (ED) with successive
interference cancellation (SIC) has been applied in this case
with i.i.d Gaussian input [9] and composite shell input [7],
respectively. As a fundamental building block in multi-user in-
formation theory, the second-order rate region of the Gaussian
interference channel (GIC) was investigated in [10], where it
was shown that not only the capacity but also the dispersion
is unaffected by the interference for both users. However,
the generalization to heterogeneous blocklength constraints
is not straightforward, since one user has to perform SIC
with an incompletely received interference codeword. This
motivates the application of ED in the setting of a GIC with
heterogeneous blocklength constraints (HB-GIC). In contrast
to [6], in HB-GIC, messages from two users are transmitted
through their own channels, respectively, and also, messages
of different transmitters are independent and do not require
superposition coding. Besides, interference signals on the two
cross-links are both received by each receiver.

The key idea of ED is that when the channel conditions
are favorable, users with higher output SNR can successfully
decode with fewer received symbols than the designed block-
length. Therefore, early decoding techniques can improve the
latency performance of communication systems. ED has been
applied with traditional first-order asymptotic analysis, for
example, in finite-state Markov channel [11] and half-duplex
cooperative channels [12]. In addition to [11] and [12], the
concept of ED has also been used in several wireless scenarios
scenarios, such as cognitive radio (CR) [13], binary input
channels under a finite blocklength assumption [14] and short
message noisy network [15]. Note that these examples in the
above references are only based on the first-order analysis,
but not the second-order analysis (in the finite blocklength
regime), which motivates our work.

Our main contribution is as follows. We investigate a two-
user Gaussian interference channel with heterogeneous block-
length and very strong interference constraints. We propose an
SIC scheme combined with ED and analyze the errors in the
first step of SIC at the stronger user 2 by using the dependence
testing (DT) bound [16]. We derive the minimum number of
received symbols at the receiver required for a successful ED
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and the corresponding second-order rate region. By numerical
results, we show and discuss the impact of channel gains of the
cross-link and the blocklength constraints on the rate region
in the second order.

This paper is organized as follows. In Section II, we
introduce the system model and some preliminaries. Section
III introduces our main results, and in Section IV we show the
numerical simulation. We conclude in Section V and sketch
the proof of our main result in Appendix A.

Notation : Upper/lower case normal letters denote ran-
dom/deterministic variables. Upper-case calligraphic let-
ters denote sets. The notation aji denotes a row vector
[ai, ai+1, . . . , aj ], while aj1 is simplified to aj . We denote
the inner product of two vectors aj and bj by ⟨aj , bj⟩. The
probability of event A is denoted by Pr(A). The expectation
and variance are denoted by E[·] and Var[·], respectively. We
denote the probability density function (PDF) and cumulative
distribution function (CDF) of a random variable X by fX
and FX , respectively. The random variable X following the
distribution with CDF F is denoted by X ∼ F . Unif(a, b)
denotes the uniform distribution between a ∈ R and b ∈ R.
We use X ⊨ Y to denote that X and Y are stochastically
independent. The logarithms used in the paper are all with
respect to base 2. We define C(x) ≜ 1

2 log(1+x). Real additive
white Gaussian noise (AWGN) with zero mean and variance
σ2 is denoted by N (0, σ2). We denote the indicator function
by 1. We denote the inverse Q-function by Q−1(.) and the
big-O notation by O(.).

II. SYSTEM MODEL AND PRELIMINARIES

A. System Model

We consider a two-user HB-GIC with very strong inter-
ference, where each user receives only private messages, and
there is no common message shared between them. Without
loss of generality, we assume that n1 > n2 and the channel
gain a21 of the cross-link "X1 → Y2" is greater than the
channel gain a12 of the cross-link "X2 → Y1", i.e., a21 > a12.
Based on the assumption, we define user 1 as the weaker user
and user 2 as the stronger user. The blocklengths of user 1 and
user 2 are denoted by n1 and n2, respectively. In addition, we
consider the very strong interference constraint: a21 ≥ 1+P2

and a12 ≥ 1+P1 [17, Ch. 21], which is a sufficient condition,
where P1 and P2 are used in the coming up definition of the
power constraints. The received signals at users 1 and 2 at time
j can be equivalently expressed respectively as the following
standard form [17]:{

Y1,j = X1,j +
√
a12X2,j + Z1,j ,

Y2,j = X2,j +
√
a21X1,j + Z2,j , ∀j ∈ {1, . . . , n2},

(1)

and{
Y1,j = X1,j + Z1,j ,

Y2,j =
√
a21X1,j + Z2,j , ∀j ∈ {n2 + 1, . . . , n1},

(2)

where Z1,j and Z2,j are two mutually independent additive
white Gaussian noises, denoted by Z1,j ⊨ Z2,j , and both are
independent and identically distributed (i.i.d.), following a
standard normal distribution Z1,j ∼ N (0, 1), Z2,j ∼ N (0, 1),
for all j ∈ {1, . . . , n1}.

The transmitters, as well as the receivers, have perfect
knowledge of the channel gains a12 and a21. The goal of
the receiver k is to decode message mk ∈ Mk within at
most nk channel uses (k = 1, 2). Here the channel inputs
Xn1

1 ∈ Fn1 ⊆ Rn1 and Xn2
2 ∈ Fn2 ⊆ Rn2 , while Fn1 and

Fn2 are sets of feasible codewords satisfying the upcoming
power constraints in (4) and (5). The considered code is
formally defined as follows:

Definition 1: An (n1, n2,M1,M2, ϵ,Fn1 ,Fn2)-code for an
HB-GIC PY1,Y2|X1,X2

consists of:
• Two message sets M1 = {1, 2, . . . ,M1}, M2 =

{1, 2, . . . ,M2},
• Two encoders ϕ1 : M1 → Fn1 , ϕ2 : M2 → Fn2 ,
• Two decoders ψ1 : Rn1 → M1, yn1

1 7→ m̂1; ψ2 : Rn2 →
M2, yn2

2 7→ m̂2.
Assume the message tuple (m1,m2) is uniformly selected
from M1 × M2, and the average system error probability
satisfies

Pe :=
1

M1M2

M1∑
m1=1

M2∑
m2=1

Pr(m̂1 ̸=m1 or m̂2 ̸=m2 | (m1, m2) is sent)

≤ ϵ, (3)

where ϵ is the target decoding error probability.
We consider the maximal power constraints on the channel

inputs, which correspond to the following feasible sets:

Fn1 = Fn1
max(P1) := {xn1

1 : ||xn1
1 ||2 ≤ n1P1}, (4)

Fn2 = Fn2
max(P2) := {xn2

2 : ||xn2
2 ||2 ≤ n2P2}, (5)

where P1 and P2 are constants, and an encoding error is
detected when the generated codeword xn1

1 does not belong
to Fn1 , or xn2

2 does not belong to Fn2 .

Fig. 1. System model of a two-user HB-GIC

We consider that two mutually independent codewords
{xn1

1 (m1) : m1 ∈ M1} and {xn2
2 (m2) : m2 ∈ M2} are

both i.i.d. Gaussian generated:{
X1,j ∼ N (0,P1), ∀j ∈ {1, · · · , n1},
X2,j ∼ N (0,P2), ∀j ∈ {1, · · · , n2}.



Similar to [8], we consider an SIC decoding scheme based
on threshold decoding. At the stronger user, i.e., user 2,
the decoder in the first step of SIC finds the smallest [16]
m ∈ M1, such that i(xn2

1 (m); yn2
2 ) > logM1, where i(·; ·)

is the information density. If a unique index m is found, set
m̂1 = m. Otherwise, it declares an error. Based on m̂1, the
decoder 2 in the next step finds the smallest m ∈ M2, such
that i(xn2

2 (m); ỹn2
2 ) > logM2, where ỹn2

2 is the received signal
subtracting the signal xn2

1 (m̂1), i.e., ỹn2
2 = yn2

2 − xn2
1 (m̂1).

If a unique index m is found, set m̂2 = m. Otherwise,
it declares an error. At the weaker user, i.e., user 1, the
decoder in the first step finds the smallest m ∈ M2, such
that i(xn1

2 (m); yn1
1 ) > logM2. If a unique index m is found,

set m̂2 = m. Otherwise, it declares an error. Based on m̂2, the
decoder 1 in the next step finds the smallest m ∈ M1, such
that i(xn1

1 (m); ỹn1
1 ) > logM1, where ỹn1

1 is the received signal
subtracting the signal xn1

2 (m̂2), i.e., ỹn1
1 = yn1

1 −xn1
2 (m̂2). If

a unique index m is found, set m̂1 = m. Otherwise, it declares
an error.

B. Preliminaries

We define the successful ED as follows:
Definition 2: [8, Def.1] A successful ED means that the

stronger user (user 2) with a shorter blocklength constraint can
decode messages of the weaker user (user 1), who has a longer
blocklength constraint, from the first ñ1 received symbols:
[Y2,1, Y2,2, · · · , Y2,ñ1

], where ñ1 ≤ n2 < n1, while the
resulting error probability fulfills the target error probability
constraint.

Remark 1: Please note that without ED, the stronger user
(user 2) must wait for n1 received symbols to start the SIC. In
contrast, by ED, the SIC can be finished earlier, which reduces
the latency.

Remark 2: Please note that user 1 can also decode user
2’s message by using ED because of the channel gain a12 ≥
1, which ensures that the signal achieving user 1’s receiver
from user 2’s transmitter through the cross-link is stronger
than its transmission to its own receiver through the direct-
link. However, ED does not make sense in this case, though
user 1 can decode user 2’s message by using symbols less
than n2 based on the channel gain assumption, since receiver
1 always needs to wait for all n1 symbols to decode the own
wanted message 1. Based on the above reasons, we consider
the normal two-step SIC decoding scheme at weaker user 1.

Note that in a P2P Gaussian channel with i.i.d. Gaussian in-
puts, based on the given channel gain a, blocklength n, power
constraint P, received SNR aP and target error probability ϵ,
there exists the second-order achievable rate [16], which can
be expressed as follows:

R(n, aP, ϵ) ≤ C(aP)−
√

VG(aP)
n

Q−1(ϵ) +O

(
log n

n

)
,

(6)

where the channel dispersion induced by i.i.d. Gaussian input
is defined as VG(aP) = log2 e · aP

1+aP .

III. MAIN RESULTS

In the following, we introduce our main results: under the
given target error probability constraint, the minimum number
of received symbols required for the successful ED at the
stronger user 2 and the second-order rate region.

Theorem 1: Denote (ϵSIC
1,1 , ϵSIC

1,2) and (ϵSIC
2,1 , ϵSIC

2,2) as the target
decoding error probabilities of (m1, m2) at the two SIC steps
at user 1 and at user 2, respectively, and let ϵ, ϵ1, and ϵ2 be the
total target decoding error probability and the target decoding
error probabilities at user 1 and at user 2, respectively. We
assume n2 < n1, a21 > a12 and the very strong interference
constraint: a21 ≥ 1+P2 and a12 ≥ 1+P1. Let the necessary
number of symbols to successfully early decode user 1’s signal
at user 2 be ñ1. If all the following conditions

n2 ≥ ñ1 ≥
log e ·

√
4ω2P1 + 2(ω2P1)2 ·Q−1

(
εSIC
2,1

)
2(1 + ω2P1) · C(ω2P1)− log e · ω2P1

·
√
n1

+
logM1

C(ω2P1)− ω2P1

2(1+ω2P1)
· log e

, (7)

and

ϵSIC
1,1 + ϵSIC

1,2 − ϵSIC
1,1ϵ

SIC
1,2≤ ϵ1, (8)

ϵSIC
2,1 + ϵSIC

2,2 − ϵSIC
2,1ϵ

SIC
2,2≤ ϵ2, (9)

ϵ1 + ϵ2 − ϵ1ϵ2≤ ϵ, (10)
0 < ϵSIC

2,1 , ϵ
SIC
2,1 , ϵ

SIC
1,1 , ϵ

SIC
1,2< 1, (11)

are fulfilled, all tuples of rates in RGIC are achievable, where

RGIC =

{
(R1,R2) :R1 ≤ C(P1)−

√
VG(P1)

n1
Q−1(ϵSIC

1,2)

+O

(
log n1
n1

)
,

R2 ≤ C(P2)−

√
VG(P2)

n2
Q−1(ϵSIC

2,2)

+O

(
log n2
n2

)}
, (12)

VG := log2 e · Pk

1+Pk
, k = 1, 2 and ω2 := a21

1+P2
, ω2P1 is the

equivalent output SNR at user 2 in the first step of SIC.

The detailed proof is relegated to the appendix. Here we show
the sketch of the proof as follows. Based on the threshold
decoding, i.e., the modified typicality decoding, the considered
error probability can be shown to be smaller than a universal
bound for all codewords, which leads to the necessary number
of received symbols for a successful ED and the corresponding
second-order rate region.

Please note that the conventional SIC used in the first-order
analysis of GIC, which requires the whole blocklength of
symbols to decode, may violate the blocklength constraint.
Then, the stronger user may only be able to use the TIN,
which obviously degrades the performance. In contrast, if the
cross-link to the stronger receiver is sufficiently stronger than



the direct link to the weaker user, with the aid of a successful
ED, the SIC can still work at the stronger user while fulfilling
the blocklength constraint.

IV. NUMERICAL RESULTS

In this section, we first show the performance of latency
reduction by using a successful ED. Then we show the second-
order achievable rate regions of the SIC with ED schemes as an
optimization problem. By using grid search, we finally show
the second-order achievable rate region and compare it to the
theoretical first-order capacity region.

A. Latency Reduction

We compare the latency between two cases: 1) decoding
after the complete codeword is received (without ED); 2) the
derived number of received symbols necessary for a successful
ED under the second-order rate analysis. We consider the
following setting: P1 = 10, and P2 = 0.2. We consider four
different blocklengths: n1 = 512, 1024, 2048, and 2560. They
are compared in Fig. 2. Without ED, the stronger user can
start to decode only after receiving n1 symbols. When ED is
successfully performed, we can observe that the improvement
of the latency reduction is enhanced with an increasing a21.

Fig. 2. The comparison between two decoding schemes: successful ED with
minimum numbers of received symbols from (7) and traditional decoding with
complete code symbols.

B. Second-order rate region

Due to the possible non-convexity of the rate region of ED,
we use the rate-profile method [18], [19], to find the rate region

instead of the common weighted sum rate approach. Then we
formulate the problem as follows: given any ω, 0 ≤ ω ≤ 1,

max
P1,P2,ϵ1,ϵ2,ϵ,R

R (13)

s.t. R1(P1, ϵ
SIC
1,2) ≥ ωR,

R2(P2, ϵ
SIC
2,2) ≥ (1− ω)R,

(7), (8), (9), (10), (11), (12).

Note that in the simulation, we invoke the normal approxima-
tion by omitting the big-O terms according to [20].

We fix n2 = 840, a12 = 11,P1 = 10, and ϵ = 10−5.
We consider different blocklengths: n1 = 1024, 2048, and
2560; different power constraints for user 2: P2 = 10 or 15;
also different channel gains: a21 = 35, 65, and 250. If ED is
infeasible, we decrease logM1 until ED becomes feasible. The
results are shown in Fig. 3 and 4. By observing the yellow

Fig. 3. Rate region comparison of ED schemes the HB-GIC. The first-order
rate region 1 and second-order rate region 1 use the following setting: n1 =
1024, n2 = 840, a12 = 11, a21 = 35,P1 = 10,P2 = 10, ϵ1 = ϵ2 =
5 × 10−5, ϵ = 10−6; the first-order rate region 2 and second-order rate
region 2 use the following setting: n1 = 1024, n2 = 840, a12 = 11, a21 =
65,P1 = 10,P2 = 15, ϵ = 10−6.

and green rate region curves in Fig. 4, we notice that, with
a fixed channel gain a21, in the absence of interference, the
second-order rate R1 for user 1 primarily decreases as the
blocklength n1 increases. This is due to the ED constraint (7).
More precisely, when n1 increases, to ensure the rightmost
term in (7) is smaller than n2, we need to reduce the feasible
region of other variables. This observation is in contrast to
the second-order rate region without the ED constraint: if we
only consider (12) without (7), increasing n1 and n2 will
diminish the impact of the dispersion and leads to a larger
rate region. By comparing the red and blue rate regions in Fig.
3, while keeping other parameters unchanged, the increase of
channel gain a21 leads to a noticeable decrease in R2, while
R1 shows less significant changes. This observation can be
attributed to the following reasons: from (12), we can infer
that the second-order rate region is primarily influenced by
the decoding error probabilities of their respective two-steps



Fig. 4. Rate region comparison of ED schemes the HB-GIC. The first-order
rate region 3 and second-order rate region 3 use the following setting: n1 =
2048, n2 = 840, a12 = 11, a21 = 250,P1 = 10,P2 = 10, ϵ1 = ϵ2 =
5 × 10−5, ϵ = 10−6; the first-order rate region 4 and second-order rate
region 4 use the following setting: n1 = 2560, n2 = 840, a12 = 11, a21 =
250,P1 = 10,P2 = 15, ϵ = 10−6.

SIC processes. Furthermore, because the error probabilities in
both the first and second steps of SIC at user 1 and user 2 are
subject to their respective target error probability constraints,
and to achieve a successful ED at user 2, n2 must satisfy the
minimum number of received symbols required for successful
ED in (7). This leads to interdependencies between n1, n2,
a21, and ϵ, i.e., making changes in blocklength n2 and channel
gain a21 result in more pronounced variations in R2 compared
to R1.

V. CONCLUSION

The paper investigated a two-user Gaussian interference
channel with heterogeneous blocklengths and very strong in-
terference constraints. We proposed an SIC scheme combined
with ED and analyzed the probability of errors by using the
DT bound. We characterized the necessary number of received
symbols for a successful ED and the achievable second-order
rate region. Our numerical results show the interdependency
between system parameters and the rate region performance.
Our future work will be on improving second-order perfor-
mance by using a better achievable scheme and also a tight
outer bound.

APPENDIX A
PROOF OF THEOREM 1

To derive the necessary number of received symbols for a
successful ED, we investigate the error analysis at the stronger
user 2 where a21 > a12. We consider the following average
error probability (at the first step of SIC) at user 2, from
the dependence testing bound [16, Theorem 21] based on a
code C = {xn1

1 (1), xn1
1 (2), . . . , xn1

1 (M1)} with blocklength

n1, while fulfilling the input power and error probability
constraints, where each codeword is Gaussian i.i.d. generated:

Pe(C) ≤
1

M1

M1∑
m=1

{
1xn1

1 (m)/∈Fn1

+ PX
n2
1

PY
n2
2 |Xn2

1 =x
n2
1 (m)[i(x

n2
1 (m);Y n2

2 ) ≤ logM1]

+ M1PX
n2
1

PY
n2
2

[i(xn2
1 (m);Y n2

2 ) > logM1]

}
, (14)

where we denote PX
n2
1

PY
n2
2 |Xn2

1 =x
n2
1 (m) and PX

n2
1

PY
n2
2

as the joint probabilities from dependent and independent
(Xn2

1 , Y n2
2 ), respectively. In (14), we consider three error

terms: the first term is the probability of cost-constraint viola-
tion; the second term is the outage probability given a specific
codeword, which means the correct codeword is treated not as
transmitted; the third term is the confusion probability given
a specific codeword, which means that the wrong codewords
are treated as the transmitted ones.

In the first step of SIC at user 2, the received signal can
be equivalently expressed as Ỹ2,j :=

√
ω2X1,j + Z̃2,j ,∀j ∈

{1, · · · , n2}, where Z̃2,j ∼ N (0, 1), Z̃2,j ⊨X1,j , and we define
the equivalent channel gain of the first step of SIC at the
stronger user as ω2 := a21

1+P2
.

Fix any codeword xn2
1 (m), m ∈ {1, . . . ,M1} from C, the

information density i(xn2
1 (m); Ỹ n2

2 ) can be calculated as:

i
(
xn2
1 (m); Ỹ n2

2

)
:=

n2∑
j=1

Uj , (15)

where

Uj :=C(ω2P1)+
log e · ω2

(
x21,j − P1 · Z̃2

2,j

)
2(1 + ω2P1)

+
log e

1 + ω2P1

√
ω2x1,jZ̃2,j . (16)

Then the centralized information density of the j-th symbol
conditioned on x1,j(m) is as follows:

Uj − µj =
log e

1 + ω2P1

(
√
ω2x1,jZ̃2,j + ω2

P1

2

(
1− Z̃2

2,j

))
,

(17)

where we denote µj as the mean of Uj conditioned on x1,j .
We denote the variance of Uj as σ2

j , then sum of Uj can
be lower bounded as follows:

n2∑
j=1

σ2
j ≥ n2

(
log e · ω2P1√
2 · (1 + ω2P1)

)2

. (18)

From [8], the absolute third moment can be upper bounded as
follows:

n2∑
j=1

EỸ2,j |X1,j=x1,j

[
|Uj − µj |3

]
≤ 4

n2∑
j=1

(
log e

√
ω2

1 + ω2P1

)3{
2|x1,j |3 + 8(

√
ω2P1)

3
}
(19)

:= B0(n2), (20)



Note that B0(n2) is a constant depending only on ω2, n2 and
P1, but not on the realization xn2

1 . The outage probability
given xn2

1 (m) can be expressed as follows

PỸ
n2
2 |Xn2

1 =x
n2
1

[
i
(
xn2
1 (m); Ỹ n2

2

)
≤ logM1

]
≤ Q(γm(n2)) + 6 ·Bo(n2), (21)

where

γm(n2)

≥ 2(1 + ω2P1) · [n2C(ω2P1)− logM1]− log e · ω2n2P1

log e ·
√

4ω2∥xn2
1 (m)∥2 + 2n2ω2

2P2
1

(22)
:= γm,1(n2). (23)

Besides, according to [16, Lemma 47], the confusion probabil-
ity conditioned on xn2

1 (m) can be upper bounded as follows:

M1 · PX
n2
1

PỸ
n2
2

[
i
(
xn2
1 (m); Ỹ n2

2

)
> logM1

]
≤ B1(n2),

(24)

where we define B1(n2) := 2 ·
(

ln 2√
πd1

2P2
1ω2n2

+ 12Bo(n2)

)
and d1 :=

√
ω2

1+ω2P1
. Note that B1(n2) is a constant depending

only on P1, n2, and ω2 but not on the realization xn2
1 .

Based on the above analysis of outage and confusion
probabilities, the error probability at the first step of SIC can
be upper bounded by a sum of a Q-function and a constant
term. In particular, by substituting (21) and (24) into (14), we
can derive the following result

Pe(C) ≤ λ

+Q

(
[2(1+ω2P1)C(ω2P1)−ω2P1log e]n2−2(1+ω2P1)logM1

log e ·
√
4ω2P1 + 2ω2

2P2
1 ·

√
n1

)
≤ ϵSIC

2,1 , (25)

where

λ = 6Bo(n2)+B1(n2)+e
−n1δ2

2 +e
−n

(2a)
1

2P1
+ln(2n1). (26)

By taking the inverse Q-function in (25) we know that

Q−1
(
ϵSIC
2,1 − λ

)
≤ [2(1+ω2P1)C(ω2P1)−ω2P1 log e]n2−2(1+ω2P1)logM1

log e ·
√
4ω2P1 + 2ω2

2P2
1 ·

√
n1

,

(27)

where (27) is because of the monotonic decreasing property
of the Q-function. Furthermore, due to the continuity of the
Q-function, we can apply Taylor expansion to the inverse Q-
function to get:

Q−1
(
ϵSIC
2,1

)
+O(λ)

≤ [2(1+ω2P1)C(ω2P1)−ω2P1 log e]n2−2(1+ω2P1)logM1

log e ·
√
4ω2P1 + 2ω2

2P2
1 ·

√
n1

.

(28)

Therefore, we can find a lower bound for the blocklength n2
under Gaussian approximation as follows

n2 ⩾
log e ·

√
4ω2P1 + 2ω2

2P2
1 ·Q−1

(
ϵSIC
2,1

)
2(1 + ω2P1) · C(ω2P1)− log e · ω2P1

·
√
n1

+
logM1

C(ω2P1)− ω2P1

2(1+ω2P1)
· log e

, (29)

which completes the proof of (7). By similar steps to [8] with
proper modifications, we can derive the rate region RGIC as
(12). Due to limited space, we omit the proof steps.
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