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Abstract
This appendix provides all necessary materials for the paper 'Lin-
ear Dynamics-embedded Neural Network for Long-Sequence Modeling’,
including model details, experimental configurations, and PyTorch imple-
mentation.
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A Notations

Table 1: Notations and their descriptions

Notations ‘ Descriptions

SSMs
u(t) € RY
z(t) e RY
y(t) e RM
A GRNXN
B ERNXH
C ERMXN
D GRMXH
A ERNXN
B ERNXH
CVERMXN
D GRMXH

AeRy
K
\%

A
FFT

State space models

System input sequence

System state

System output sequence

System matrix in continuous SSMs

Input matrix in continuous SSMs

Output matrix in continuous SSMs
Direct transition matrix in continuous SSMs
System matrix in discrete SSMs

Input matrix in discrete SSMs

Output matrix in discrete SSMs

Direct transition matrix in discrete SSMs
Discrete time step in discrete SSMs

State kernel in convolutional SSMs
System kernel in convolutional SSMs
Diagonal system matrix in diagonal SSMs
Fast Fourier Transform




B Model Details

B.1 Convolutional View of Continuous SSMs

Here, we introduce the convolutional view of continuous SSMs [I].

t
z(t) = ez(0) +/ A7) Bu(r)dr
0

=Mz (0) + /t eMBu(t — 7)dr (1)
=My t u(t — 1)dr

= eMa(0)+ [ (e —r)a @
= eAtx(O) + (hxu)(t) (3)

Using the change of variables, we reformulate Eq. . Then, let h(t) = eA*B,
we obtain the convolutional SSMs according to the definition of convolution.

B.2 Numerical Discretization
B.2.1 Zero-order Hold Method

The state transition function is an ordinary differential equation (ODE). We can
obtain its analytical solution as follows.

#(t) = Ax(t) + Bu(t)

#(t) — Azx(t) = Bu(t)
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z(t) = eMx(0) + /O t A7) Bu(r)dr (4)

Eq. is the analytical solution of z(t). Then, we rewrite Eq. with

initial time %q.

x(t) = eA(t_t")a:(to) + /t eA(t_T)Bu(T)dT (5)

to



When we sample the u(t) with time interval A, ¢ becomes kA, where k =
0,1, ... is a positive integer. The Zero-order Hold method assumes u(t) = u(kA).
For ¢t € [kA, (k + 1)A]. Thus, we have

(k+1)A
z((k+1)A) = APz (kA) + / eAEHDA=T) 4 Bu(kA) (6)
kA

We abbreviate z((k + 1)A), x(kA), and w(kA) as xp11, Tk, and uy, respec-
tively. Here, we get the discrete transition function.

Tpy1 = Axy, + Buy, (7)

with A = e4%, B = (KFDA LA((R+1)A-7) g B,
We can further simplify B assuming that A is invertible.

(k+1)A
B= / MDA 4r B
kA

A
z/ eAdtB
0
A At
= / A‘lde—dtB
0 dt
=AM - 1B (8)

B.2.2 Numerical Approximation

Based on Taylor series expansion, the first derivative of x can be approximated
by numerical differentiation. Using the forward Euler Eq. _@D, or the backward
Euler Eq. to approximate x, we obtain the A, and B as described in Eq.

[TD).

w T = A.’Et+1 + But (10)

When we use the Generalized Bilinear Transformation method (GBT).

{A: (I - aAA) ™Y (I + (1 - a)AA) (11)

B=(I-aAA)"lAB

There are three special cases for the GBT with different a: the forward Euler
method is GBT with a = 0, the Bilinear method is GBT with a = 0.5, and the
backward FEuler method is GBT with = 1. Those methods approximate the
differential equation based on Taylor series expansion.



B.3 Parameterization and Initialization of LDNN

The diagonal SSMs have learnable parameters A, B,C, D, and a time step A
for discretization. We introduce the parameterization and initialization of these
parameters, respectively.

Parameter A. According to Proposition 1 in Section III. A, we know that all
elements in A must have negative real parts to ensure state convergence. Thus,
we restrict A with an enforcing function f, expressed as —f (Re(A)) + Im(A)i.
The enforcing function fi outputs positive real numbers and may have many
forms, for example, the Gaussian function, the rectified linear unit function
(ReLU), and the Sigmoid function. A random or constant function can initialize
A. Besides, it can be initialized by the eigenvalues of some specially structured
matrices, such as the HIPPO matrix introduced in [2]. We initialize A via HIPPO
throughout this work.

Parameter B and C. B and C are the parameters of the linear projection
function. We parameterize them as learnable full matrices. Furthermore, the
initialization of B is given as random numbers under HiPPO framework as
introduced in section [B:4] C is initialized by truncated normal distribution.

Parameter D. Different parameterizations of D have different meanings. If
we parameterize D as an untrainable zero matrix, the output of SSMs is only
dependent on the state. When the input and output are the same size, we can
parameterize it as an identity matrix, also known as residual connection [3]. In
this work, D is parameterized as a trainable diagonal matrix, which is initialized
by a constant 1 in this work.

Parameter A. A € R is a scalar for a given SSM. We set it as a learnable
parameter and initialize it by randomly sampling from a bounded interval. This
work uses [0.001, 0.1] as fault choice if not otherwise specified. We experimentally
find that relaxing the size of A from R to RY will improve model accuracy, which
is also reported in S5 [4]. Therefore, A € R¥ is used across all experiments.

B.4 HiPPO Initialization

HiPPO theory introduces a way to compress continuous signals and discrete-
time series by projection onto polynomial bases [2]. The continuous SSMs,
as a particular type of ordinary differential equation (ODE), also belong to
this framework. Thus, the structured HiPPO matrix shall serve as a good
initialization method of A, B. Following [4], we choose the HiPPO-LegS matrix
for initialization, which is defined as

2n+1)Y22k+1)Y? n>k

An=—<n+1, n=k. (12)
07 Tl<k
by, = (2n+1)2. (13)

The naive diagonalization of A, to initialize A would lead to numerically



infeasible and unstable issues. Gu et al. [B] proposed that this problem is solved
by equivalently transforming A,; into a normal plus low-rank (NPLR) matrix,
which is expressed as a normal matrix

ANormal — VAV* (14)
together with a low-rank term.
A = ANormal _ PQT -V (A _ (V*P)(V*Q)*) AVa (15)
where unitary V. € CV*¥ diagonal A € CN*¥V, and low-rank factorization
P, Q c RNXT‘.
The HiPPO-LegS matrix can be further rewritten as
Ank: _ ANormal _ PPT (16)
where

(04 320+ V2, s

ANormal — _ 1 n==%k. (17)
2
(n+ )20k +5)1% <k

P, =(n+ %)% (18)

We initialize A using the eigenvalue of AN°™™al Following S5 [4], the eigen-
vectors of ANermal are used for B, C initialization.



C Comparison with related models

C.1 Structure Comparison of SSMs

According to SSM’s different input and output dimensions, the current related
work can be divided into two categories. One type is built on SSM with single-
input single-output (SISO), including S4, DSS, and S4D; the other type is based
on SSM with multi-input multi-output (MIMO), including S5 and LDNN in this
work.

As shown in Fig. [1} SISO SSM uses univariate sequences as input and output,
while MIMO SSM directly models multivariate sequences. Usually, multiple
SISO SSMs are used to model a multivariate sequence independently, and then
a linear layer is used for feature fusion, as used in S4 and DSS. Compared with
SISO SSM, MIMO SSM does not require an additional linear layer.

Table [2 concludes the structure of different SSM-based models. Except for
S4, other methods are based on diagonal SSMs. S5 is the only one that directly
utilizes recursive SSM for reasoning and learning. Though other models can
perform recursive reasoning, learning is based on convolutional SSM.

Table 2: Extend Comparison of Different SSM-based Models.

Model  Type  Structure Convolutional Kernel Computation Convolution Recurrence Discretiztion
S4 SISO DPLR v Cauchy FFT vanilla Bilinear
DSS SISO Diagonal v softmax FFT vanilla ZOH
S4D SISO Diagonal v Vandermonde FFT vanilla Optional
S5 MIMO  Diagonal X X X Scan operation Bilinear
LDNN MIMO Diagonal v Vandermonde FFT vanilla ZOH

C.2 Relationship Between S4, S5, and LDNN

S4 and S5 are the most representative works in SISO and MIMO SSM. Here,
we analyze the relationship between LDNN and them. Fig [2| presents the
computational flow of those models. The following statements are summarized:

e S4 is based on the SISO SSM, while S5 and LDNN are based on MIMO SSM.

e S4 uses a DPLR parameterization for system matrix A. S5 and LNDD both
use diagonal SSM.

e All three models can make inferences in recurrent mode. However, they differ
in the learning process. S4 and LDNN learn in convolutional representations,
but S5 learns in recurrent representation.

e S4 calculates the kernel and convolution in the frequency domain, but LDNN
calculates convolution in the frequency domain and the kernel in the time
domain.

e Multi-Head LNDD and multi-copy of S4 are block-diagonal MIMO SSM, but
they differ in the structure of SISO and MIMO SSMs, as shown in Fig
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S4 with H copies is the special case of Multi-Head LNDD with head number
S = input size H.

S5 is equivalent to Multi-Head LNDD with head S=1.

A, B, and C'in S4 and S5 are complex numbers, but LDNN only parameterizes
A as complex numbers.

Bidirectional settings in LDNN do not introduce additional parameters, but
S4 and S5 do.
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D Supplementary Results

D.1 Extend Results on LRA

Table 3: Extend Results on the LRA benchmark tasks.

Model ListOps  Text  Retrieval Image Pathfinder Path-X — Avg.
length 2,000 4,096 4,000 1,024 1,024 16384 -
Transformer [6] 36.37  64.27 57.46 42.44 71.40 - 53.66
Reformer [7] 37.27 56.10 53.40 38.07 68.50 - 50.56
Performer [8] 18.01 65.40 53.82 42.77 77.05 - 51.18
Linear Trans [9] 16.13 65.90 53.09 42.34 75.30 - 50.46
BigBird [10] 36.05 64.02 59.29 40.83 74.87 - 04.17
Luna-256 [11] 37.25 64.57 79.29 47.38 77.72 - 59.37
FNet [12] 35.33 65.11 59.61 38.67 77.80 - 54.42
Nystromformer [I3] 37.15 65.52 79.56 41.58 70.94 - 57.46
H-Transformer-1D [14]  49.53 78.69 63.99 46.05 68.78 - 61.42
CCNN [15] 43.60 84.08 - 88.90 91.51 - 68.02
CDIL-CNN [16] 60.60 87.62 84.27 64.49 91.00 - 77.59
S4 5] 59.60 86.82 90.90 88.65 94.2 96.35 86.09
DSS [17] 60.6 84.8 87.8 85.7 84.6 87.8 81.88
S4D [18] 60.47 86.18 89.46 88.19 93.06 91.95 84.89
S5 [ 6215 89.31 91.40 8300  95.33  98.58 87.46
LDNN 62.20  88.25 90.15 87.25 93.87 92.76 85.75
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D.2 Extend Results on Raw Speech Classification

Table 4: Test accuracy on 10-way Speech Commands classification task.

Model MFCC  16kHz 8kHz
(Length) (784)  (16,000)  (8,000)
Transformer [19,[6]  90.75 - -
Performer [§] 80.85 30.77 30.68
ODE-RNN 20]  65.9 ; ;
NRDE [21] 89.8 1649  15.12
ExpRNN [22] 8213 116 10.8
LipschitzZRNN [23]  88.38 - -
CKConv [24] 95.3 7166  65.96
WaveGAN-D [23] ] 96.25 .
LSSL [26] 93.58 - -
S4 5] 93.96  98.32  96.30
LDNN 94.46 97.59 94.23

Table 5: Test accuracy on 35-way Speech Commands classification task.

Model Parameters 16kHz 8kHz
(Length) (16,000)  (8,000)
InceptionNet [27] 481K 61.24 05.18
ResNet-18 [27] 216K 77.86 08.74
XResNet-50 [27] 904K 83.01  07.72
ConvNet [27] 26.2M 95.51 07.26
S4-LegS [5] 307K 96.08 91.32
S4-FouT 28] 307K 95.27  91.59
S4-(LegS/FouT) [28] 307K 9532 90.72
S4D-LegS [17] 306K 95.83 91.08
S4D-Inv [I7] 306K 96.18 91.80
S4D-Lin [I7] 306K 96.25 91.58
Liquid-S4 [29] 224K 96.78 90.00
S5 [ 280K 96.52  94.53
LDNN 220K 96.08 88.83
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D.3 Extend Results on Pixel-level 1-D Image classification

Table 6: Extend Test accuracy on Pixel-level 1-D Image classification.

Model sMNSIT psMNIST sCIFAR
(Length) (784) (784) (1024)
Transformer [19, [6] 98.9 97.9 62.2
CCNN [15] 99.72 98.84  93.08
FlexTCN [30] 99.62 98.63 80.82
CKConv [24] 99.32 98.54 63.74
TrellisNet [31] 99.20 98.13 73.42
TCN [32] 99.0 97.2 -
LSTM [33] [34] 98.9 95.11 63.01
r-LSTM [19] 98.4 95.2 72.2
Dilated GRU [35] 99.0 94.6 -
Dilated RNN [35] 98.0 96.1 -
IndRNN [36] 99.0 96.0 -
expRNN [22] 98.7 96.6 .
UR-LSTM [33] 99.28 96.96 71.00
UR-GRU [33] 99.27 96.51 74.4
LMU [37] - 97.15 -
HiPPO-RNN [2] 98.9 98.3 61.1
UNIcoRNN [38] - 98.4 -
LMU-FFT [39] - 98.49 -
LipschitzRNN [23] 99.4 96.3 64.2
LSSL |26] 99.53 98.76 84.65
S4 5] 99.63 98.70 91.80
S4D [18] - - 89.92
Liquid-S4 [29] - - 92.02
S5 [ 99.65 98.67 90.10
LDNN 99.54 98.45 88.12
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E Experimental Configurations for Reproducibil-
ity
E.1 Hyperparameters

Details of all experiments are described in this part. Table [7] lists the key
hyperparameter , including model depth, learning rate, and so on.

Table 7: Key hyperparameters. Reused from main context.

Dataset Batch Epoch Depth Head H N M SSM LR'O thers Dropout  Prenorm
ListOps 100 80 6 4 256 256 256  0.01 0.01 0 False
Text 16 80 6 256 256 256 256  0.001 0.004 0.1 True
Retrieval 32 20 [§ 64 128 128 128 0.001 0.002 0 True
Image 50 200 [§ 64 256 512 256  0.001 0.005 0.1 False
Pathfinder 64 300 6 8 192 256 192 0.001 0.005 0.05 True
Pathx 8 200 [§ 8 192 256 192 0.0005 0.001 0 True
SC10-MFCC 16 80 4 32 128 128 128 0.001 0.006 0.1 False
SC10 16 150 6 32 128 128 128 0.001 0.006 0.1 True
SC35 16 100 [§ 32 128 128 128 0.001 0.008 0.1 False
sMNSIT 50 150 4 16 128 96 128 0.002 0.008 0.1 True
psMNIST 50 200 4 8 128 128 128 0.001 0.004 0.15 True
sCIFAR 50 200 6 64 256 512 256  0.001 0.005 0.1 True

Activation MIMO SSM directly models the multivariate sequence; no ad-
ditional layer is needed to mix features. Therefore, we follow S5 and use a
weighted sigmoid gated unit. Specifically, the LDNN outout y; € R is fed into
the activation function expressed as uj, = Gelu(yy) © o(W * Gelu(yy)), where
W € RM*M ig g learnable dense matrix. This activation function is used as the
default setting if not otherwise specified.

Normalization Either batch or layer normalization is applied before or after
LDNN. Batch normalization after LDNN is used if not otherwise specified.

Initialization All experiments are initialized using the same configuration
introduced in

Loss and Metric Cross-entropy loss is used for all classification tasks. Binary
or multi-class accuracy is used for metric evaluation.

Optimizer AdamW is used across all experiments. The learning rate applied
to SSM is named LRggns, and the other is named LR,¢per. The learning rate
is dynamically adjusted by CosineAnnealingLR or ReduceLROnPlateau in
PyTorch.

14



E.2 Task Specific Hyperparameters

Here, we specify any task-specific details, hyperparameters, or architectural
differences from the defaults outlined above.

E.2.1 Listops

The bidirectional setting is not used. Leakyrelu activation is applied. C' is
initialized by HiPPO.

E.2.2 Text

The learning rate is adjusted by ReduceLROnPlateau with factor=0.5, pa-
tience=5. LR,iher is applied to SSM parameter C.

E.2.3 Retrieval

We follow the experimental configuration in S4. The model takes two documents
as input and outputs two sequences. A mean pooling layer is then used to
transform these two sequences into vectors, noted as y; and y,. Four features
are created by concatenating y; and yo as following

Yy = [yl,ymyl*ymyl*yz}- (19)

This concatenated feature is then fed to a linear layer and gelu function for
binary classification.

The learning rate is adjusted by Cosine Annealing L R with warmup steps=1,000
and total training steps=50,000. LR,ner is applied to SSM parameter C.

E.2.4 Image

The learning rate is adjusted by ReduceL ROnPlateau with factor=0.6, pa-
tience=5. LRyinher is applied to SSM parameters B and C. Data augmentation,
including horizontal flips and random crops, is applied.

E.2.5 Pathfinder
The learning rate is adjusted by CosineAnnealingL R with warmup steps=>5,000
and total training steps=40,000. LR,per is applied to SSM parameter C.

E.2.6 Path-X

The learning rate is adjusted by CosineAnnealing L R with warmup steps=10,000
and total training steps=1,000,000. LRy¢per is applied to SSM parameter C'. A
is initialized by uniformly sampling from [0.0001, 0.1]. 50% training set is used
before epoch=110. Validation and testing sets remain unchanged. A scale factor
of 0.0625 is applied to A.
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E.2.7 Speech Commands 10 - MFCC

The learning rate is adjusted by ReduceL ROnPlateau with factor=0.2, pa-
tience=5. LR,ther is applied to SSM parameter C.

E.2.8 Speech Commands 10
The learning rate is adjusted by ReduceL ROnPlateau with factor=0.2, pa-
tience=10. LRther is applied to SSM parameter C'.

E.2.9 Speech Commands 35

The learning rate is adjusted by Cosine AnnealingL R with total training steps=270,000.

E.2.10 Sequential MNIST

The learning rate is adjusted by ReduceL ROnPlateau with factor=0.2, pa-
tience=10. LRyther is applied to SSM parameters B and C.

E.2.11 Permuted Sequential MNIST

The learning rate is adjusted by Cosine AnnealingL R with warmup steps=1,000
and total training steps=81,000. LR,ner is applied to SSM parameter C.

E.2.12 Sequential CIFAR

The same hyperparameter is used as in LRA-Image.

E.3 Dataset Details

Here, we provide more detailed introductions to LRA, Speech Commands, and
1D image classification. This work follows the same data preprocessing process
of S4 and S5. For the preprocessing details of each task, please refer to the code
we provide at https://github.com/leontyl/DeepLDNN.

LRA

ListOps: The ListOps contains mathematical operations performed on lists
of single-digit integers, expressed in prefix notation [40]. The goal is to predict
each complete sequence’s corresponding solution, which is also a single-digit
integer. Consequently, this constitutes a ten-way balanced classification problem.
For example, [MIN 2 9 [MAX 4 7] 0 | has the solution 0. All sequences have
a uniform length of 2000 (if not padded with zero). The dataset has a total of
10,000 samples, which are divided into 8:1:1 for training, validation, and testing.

Text: This dataset is based on the IMDB sentiment dataset. This task
aims to classify the sentiment of a given movie review (text) as either positive
or negative. For example, a positive comment: 'Probably my all-time favorite

16
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movie,.... The maximum length of each sequence is 4,096. IMDB contains
25,000 training examples and 25,000 testing examples.

Retrieval: This task measures the similarity between two sequences based
on the AAN dataset [41]. The maximum length of each sequence is 4,000. It is a
binary classification task. There are 147,086 training samples, 18,090 validation
samples, and 17,437 test samples.

Image: This task is based on the CIFAR-10 dataset [42]. Grayscale CIFAR-
10 image has a resolution of 32 x 32, which is flattened into a 1D sequence for
a ten-way classification. All sequences have a length of 1024. It has 45,000
training examples, 5,000 validation examples, and 10,000 test examples.

Pathfinder: This task aims to classify whether the two small circles
depicted in the picture are connected with dashed lines, constituting a binary
classification task [43]. A grayscale image has a size of 32 x 32, which is flattened
into a sequence with length 1,024. There are 200, 000 examples, which are split
into 8:1:1 for training, validation, and testing process.

Path-X: A more challenging version of the Pathfinder. The image’s
resolution was increased to 128 x 128, resulting in a sixteenfold increase in
sequence length, from 1024 to 16,384.

Raw Speech Commands

Speech Commands-35: This dataset records audio of 35 different words [44].
This task aims to determine which word a given audio is. It is a multi-classification
problem with 35 categories. There are two audio collection frequencies, 16 K H z
and 8K Hz. All audio sequences have the same length, 16,000 if sampled at
16 K Hz or 8,000 if sampled at 16 K Hz. It contains 24,482 training samples,
5,246 validation samples, and 5,247 testing samples.

Speech Commands-10: This database contains ten categories of audio, a
subset of Speech Commands—35.

Speech Commands-MFCC: The original audio in Speech Commands-10
is pre-processed into MFCC features with length of 161.

Pixel-level 1-D Image Classification

Sequential MNIST (sMNIST) : 10-way digit classification from a 28 x 28
grayscale image of a handwritten digit, where the input image is flattened into a
784-length scalar sequence.

Permuted Sequential MNIST (psMNIST): This task aims to perform
10-category digit classification from a 28 x 28 grayscale image of handwritten
digits. The original image is first flattened into a sequence of length 784. Next,
this sequence is rearranged in a fixed order.

Sequential CIFAR (SCIFAR): Color version of image task, where each
image is an (R,G,B) triple.

17



E.4 Implementation Configurations

All the experiments are conducted with:
e Operating System: Windows 10, version 22H2
e CPU: AMD Ryzen Threadripper 3960X 24-Core Processor @ 3.8GHz
e GPU: NVIDIA GeForce RTX 3090 with 24 GB of memory
o Software: Python 3.9.12, Cuda 11.3, PyTorch [45] 1.12.1.
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F PyTorch Implementation of LDNN Layer

import torch

1
2

3 # B = batch, C = channel, S = head, H = input size,

4 # M = output size, N = state size, L = sequence length

5

6 def discretize_zoh (Lambda, B, Delta):

7 """ Discretize the diagonal, continuous-time linear SSM with MIMO

8 Args:

9 Lambda (complex64): diagonal state matrix (C, S, N)

10 B (complex64): input matrix (C, S, N, H)
11 Delta (float32) : discretization step sizes (C, S, N)

12 Returns:

13 discretized Lambda_bar (complex64), B_bar (complex64) o

14 Lambda_bar = Lambda * Delta

15 Identity = torch.ones_like (Lambda)

16 B_coef = (reciprocal (Lambda) * (torch.exp (Lambda_bar)-Identity))

17 B_bar = torch.einsum(’cn,cnh->cnh’, B_coef, B)

18 return Lambda_bar, B_bar

N o=

def ldnn (Lambda_bar, B_bar, C_tilde, D, input):
""" Discretized SSM as linear dynamic-embedded neural network.

1

2 Args:

3 input (float32): input sequence of features (B, H, L)

4 Returns: y (float32): outputs (B, M, L) wnn

#Split input into heads, h=H/S
u = u.reshape(B, S, h, L)

o

NN NN NN N
3 o @ N

®

#Calculate Bxu
B_u = torch.einsum(’csnh,bshl->bcsnl’, B_bar, u)

w oW N
= o ®

#Compute State Kernel
length = torch.arange (Lk) .cuda ()
p=torch.einsum(’csn,l->csnl’, Lambda_bar, length)

0 W W W
[N

state_kernel = p.exp() # [channel, head, N, L]
36 state_kernel = state_kernel.real # real part of complex kernel
37
38 #Bidirectional kernel for non-causal state inference
39 if self.bidirectional:
40 #reversal backforward kernel
41 state_kernel_new=F.pad(state_kernel, (0, L))+F.pad(state_kernel.flip(-1),( L, 0)
42 else:
43 state_kernel_new =state_kernel
44
45 #Efficient convolution for state inference via FFT
46 k_f = torch.fft.rfft (state_kernel_new, n=n)
47 u_f = torch.fft.rfft (B_u, n=n)
48 x_f = torch.einsum(’bcsnl,csnl->bcsnl’, u_f, k_f)
49 x = torch.fft.irfft(x_f, n=n)[..., :L]
50
51 #Calculate CxX
52 C_x = torch.einsum(’csmn, bcsnl->bcsml’, C, x)
53
54 #Calculate output with Du
55 y = C_x + torch.einsum(’csmh, bshl->bcsml’, self.D, u_D)
56
57 #Mix channels using linear projection
58 y= dropout (y)
59 y = self.channel mixer (y)
60
61 #Activation
62 y=activation (y)
63
64 return y

Listing 1: PyTorch implementation to apply a single LDNN layer to a batch of input
sequences. 20
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