arXiv:2405.07255v1 [eess.SP] 12 May 2024

Notice: This work has been submitted to the IEEE for possible publication. Copyright may be transferred without notice, after which this version may no longer be accessible.

Deep Learning-aided Parametric Sparse Channel Estimation for Terahertz Massive MIMO Systems

Jinhong Kim, Member, IEEE, Yongjun Ahn, Member, IEEE, Seungnyun Kim, Member, IEEE, and Byonghyo Shim, Senior Member, IEEE,

Abstract Terahertz (THz) communications is considered as one of key solutions to support extremely high data demand in 6G. One main difficulty of the THz communication is the severe signal attenuation caused by the foliage loss, oxygen/atmospheric absorption, body and hand losses. To compensate for the severe path loss, multiple-input-multiple-output (MIMO) antenna array-based beamforming has been widely used. Since the beams should be aligned with the signal propagation path to achieve the maximum beamforming gain, acquisition of accurate channel knowledge, i.e., channel estimation, is of great importance. An aim of this paper is to propose a new type of deep learning (DL)-based parametric channel estimation technique. In our work, DL figures out the mapping function between the received pilot signal and the sparse channel parameters characterizing the spherical domain channel. By exploiting the long short-term memory (LSTM), we can efficiently extract the temporally correlated features of sparse channel parameters and thus make an accurate estimation with relatively small pilot overhead. From the numerical experiments, we show that the proposed scheme is effective in estimating the near-field THz MIMO channel in THz downlink environments. Index Terms time-varying channel estimation, near-field transmission, terahertz (THz) communication system, long short-term memory (LSTM) A preliminary version of this paper was presented at the International Conference on Communications (ICC), Seoul, Korea, 16-20 May, 2022 [1].

This work was supported by the Institute of Information and Communications Technology Planning and Evaluation (IITP) Grant funded by the Korea Government (MSIT, Development of Intelligent Wireless Access Technologies) under Grant 2021-0-00972 and the National Research Foundation of Korea (NRF) grant funded by the Korea government (MSIT) (2022M3C1A3099336 and RS-2023-00252789).

Jinhong Kim and Yongjun Ahn are with Samsung Electronics, Seoul 06765, (e-mail: jinhong3.kim@samsung.com; yong jun.ahn@samsung.com)

Seungnyun Kim is with the Laboratory for Information and Decision Systems, Massachusetts Institute of Technology, Cambridge, MA 02139 USA (e-mail: snkim94@mit.edu).

Byonghyo Shim is with the Department of Electrical and Computer Engineering and the Institute of New Media and Communications, Seoul National University, Seoul 08826, Republic of Korea (e-mail: bshim@snu.ac.kr).

I. INTRODUCTION Terahertz (THz) communication has stimulated great deal of interest as an essential technology to meet the ever-increasing demand for higher data rates in 6G in recent years [2]–[5]. Exploiting the plentiful spectrum resources in the THz frequency band (0.1 THz ∼ 10 THz), THz communication can support way higher data rate than the conventional sub-6GHz and millimeter-wave wireless communication systems can offer. However, handling of THz spectrum is challenging since the signal power is severely degraded by the high diffraction and penetration loss, atmospheric absorption, and rain attenuation [6]. To overcome the problem, the beamforming technique using the multiple-input-multiple-output (MIMO) antenna arrays has been widely used [7], [8]. Since the beamforming gain is maximized only when the transmit beams are aligned with the channel propagation paths, obtaining an accurate channel information is crucial for the THz MIMO systems.

Traditionally, linear estimation techniques such as least squares (LS) and linear minimum mean square error (LMMSE) estimators have been popularly used for the channel estimation of the MIMO systems [9]–[12]. Potential problem of the conventional approaches is that the amount of pilot resources needed for the channel estimation are proportional to the number of the transmit antennas. This problem is even more serious in the THz communication systems since the required number of transmit antennas to achieve the beamforming gain is quite large (hundred to thousand elements). For example, if the number of transmit and receive antennas are N_T = 64 and N_R = 8, respectively, then the base station (BS) has to transmit at least 4 resource blocks (RBs) (12 × 14 resources in each RB of 5G NR) just for the pilot transmission, occupying almost 25% of a subframe in 5G NR under the 240 kHz subcarrier spacing.

In order to reduce the pilot transmission overhead associated with the channel estimation, compressed sensing (CS)-based channel estimation technique has been proposed [11]–[13]. Essence of this approach is to use the property that the number of effective paths is at most a few (line-of-sight (LoS) and 1 ∼ 2 non-line-of-sight (NLoS) paths) in the THz channel. Under this condition, one can readily convert the channel estimation problem into the sparse recovery problem on the angular domain. Since the premise of the CS technique is that the sparse channel can be recovered with measurements whose size being proportional to O(k log(n/k)) where k is the number of propagation paths and n is dimension of quantized angles, the required pilot resources for the channel estimation can be reduced considerably.

While the CS-based channel estimation is effective to some extent, the benefit will vanish when the channel exhibits the near-field effect characteristics. Since the wavefront of the THz electromagnetic signal is spherical, conventional angular domain channel model obtained by the planar wavefront model in far-field will not be accurate and, in fact, make a severe mismatch in most practical scenarios [14]. This mismatch between the real and modeled channels will clearly lead to the severe degradation in the channel estimation performance so that a new channel model and estimation technique suited for the near-field THz channel is needed.

An aim of this paper is to propose a novel channel estimation technique for the THz communication systems. Exploiting the property that the near-field THz channel can be expressed as a few parameters in the spherical domain, viz., angle of departures (AoDs), angle of arrivals (AoAs), distances, and path gains, the proposed technique, henceforth referred to as deep sparse time-varying channel estimation (D-STiCE), estimates the sparse channel parameters and then reconstructs the channel using the obtained parameters. To estimate the sparse channel parameters in the continuous domain, D-STiCE employs a deep learning (DL) technique, a data-driven learning approach to approximate the desired function. In a nutshell, the proposed D-STiCE learns the mapping function between the sequential data (in our case, pilot measurements) and the continuous channel parameters. As a main engine for the task at hand, we exploit the long short-term memory (LSTM), a model specialized for extracting temporally correlated features from the sequential data. By extracting the temporal correlation of channel parameters, we make a fast yet accurate channel estimation with relatively small amount of pilot resources.

The main contributions of this paper are as follows.

• We propose a two-stage channel estimation scheme for THz massive MIMO systems. Our approach includes 1) large-scale parameter estimation to identify the geometric channel parameters and 2) small-scale parameter estimation to identify the random variations of the path gain. Since the geometric parameters vary much slower than the path gains, we estimate the parameters in different time scales. That is, we estimate the angles and distance occasionally and estimate the path gains frequently. In doing so, we can avoid the waste of pilot resources required for the frequent estimation of static or quasi-static channel components.

• We design a novel DL-based channel estimation tailored for the THz near-field environment.

In our approach, we perform the nonlinear decomposition of the near-field THz channel to express the channel using a few geometric parameters. We exploit LSTM to extract the

Fig. 1. Illustration of THz MIMO systems with NT transmission antennas, NR receiver antennas, and NRF RF chains.

temporal correlation among geometric parameters in pilot measurements, which is then used to identify the large-scale near-field channel parameters.

• To validate the effectiveness of the proposed D-STiCE, we conduct numerical evaluations in the realistic THz massive MIMO environments. We demonstrate that D-STiCE outperforms the conventional LS, LMMSE, CS-based channel estimation, and also CNN-based channel estimation technique by a large margin. For example, D-STiCE achieves more than 4 dB gain in NMSE over the LS and LMMSE in high SNR regime. Even when compared to the CS and CNN-based scheme, D-STiCE achieves more than 3 dB gain in bit error rate (BER).

The rest of this paper is organized as follows. In Section II, we discuss the near-field THz MIMO-OFDM system and briefly review conventional channel estimation techniques. In Section III, we present the D-STiCE technique and provide a detailed description of the model. In Section IV, we discuss various implementation issues. In Section V, we present simulation results to verify the performance gain of the proposed technique and conclude the paper in Section VI.

Notations: Lower and upper case symbols are used to denote vectors and matrices, respectively. The superscripts (·)^T, (·)^H, and (·)^+ denote the transpose, hermitian transpose, and pseudoinverse, respectively. ‖x‖ is used as the Euclidean norm of a vector x. vec(X) denotes the vectorization of X and diag(x) denotes a diagonal matrix whose diagonal elements are x. In addition, X_1 ⊗ X_2 denote the Kronecker products of X_1 and X_2.

II. THZ MIMO SYSTEM MODEL In this section, we discuss the near-field channel model for THz communications. We also provide a brief discussion of the conventional channel estimation techniques.

A. Downlink THz OFDM System Model

We consider a wideband downlink THz MIMO-OFDM systems where the BS equipped with N_T = N_{T h} × N_{T v} planar antenna array serves the user equipment (UE) equipped with N_R = N_{Rh} × N_{Rv} planar antenna array (see Fig. 1). We assume that both BS and UE have N_{RF} RF chains. The number of OFDM subcarriers is N_s, among which K subcarriers are used for the downlink pilot transmission. Specifically, the downlink training period consists of M successive time frames, each of which is divided into T sub-frames. In this work, we use K = {1, · · · , K}, M = {1, · · · , M}, and T = {1, · · · , T } to denote the sets of indices for pilot subcarriers, time frames, and sub-frames, respectively (see Fig. 2).

In the THz MIMO system, the demodulation reference signal (DMRS) is transmitted after the beamforming to deal with the path loss and directivity problems of THz transmission. In order to do so, the beam direction between the BS and the UE should be identified before the DMRS transmission. In the 5G NR systems, the two-step beam management has been used to this end. In the first stage called beam sweeping stage, the BS transmits the synchronization signal block (SSB) beam codewords. After receiving the SSB measurements, a mobile feeds back the index of a beam associated with the highest reference signal received power (RSRP). For the area obtained from this process, the BS transmits multiple CSI-RS beam codewords to fine-tune the beam direction in the beam refinement stage.

In the THz communication system, the received pilot signal (e.g., CSI-RS in 5G NR [15]) r_m[k] ∈ C^{NR ×1} of UE associated with k-th pilot subcarrier at m-th time frame is given by

r_m[k] = H[k]f_ms_m[k] + v_m[k], m ∈ M, k ∈ K, (1)

where H[k] ∈ C^{NR ×NT} is the downlink channel matrix, f_m ∈ C^{NT ×1} is the beamforming vector, s_m[k] ∈ C is the pilot symbol, and v_m[k] ∈ C^{NR ×1} is the additive Gaussian noise vector of k-th pilot subcarrier at m-th time frame. During T successive sub-frames, the UE sequentially employs combining vectors w_1, · · · , w_T ∈ C^{NR ×1} to obtain the processed signal y_{m,k}[k]: y_{m,t}[k] = w^H_t H[k]f_ms_m[k] + n_{m,t}[k], t ∈ T , m ∈ M, k ∈ K (2)

Fig. 2. Example of the time scale of sub-frames and time frames in channel coherence block. In this illustration, we set M time frames for precoding at the BS side and T sub-frames for combining at the UE side. The UE receives a pilot signal for each transmitted precoder codeword by measuring all possible combiner codewords.

where n_{m,t}[k] = w^H_t v_m[k]. By combining the processed signals into M × T pilot signal matrix Y[k], we have Y[k] = W^HH[k]FS[k] + N[k], k ∈ K, (3)

where F = [f_1, · · · , f_M ] ∈ C^{NT ×M} is the beamforming matrix, W = [w_1, · · · , w_T ] ∈ C^{NR ×T} is the combining matrix, and S[k] = diag(s_1[k], · · · , s_M [k]) is the pilot symbol matrix. Finally, by vectorizing and concatenating the pilot signal matrices of K pilot subcarriers, we obtain the measurement vector y:

y = [vec(Y[1])^T, · · · , vec(Y[K])^T]^T. (4)

B. Near-field THz MIMO Channel Model

In the THz communication systems, beamforming technique exploiting the massive MIMO antenna array is needed to compensate for the path loss. In fact, main purpose of the beamforming

Fig. 3. Illustration of near-field and far-field wavefront and the distance between(0, 0)-th antenna and (x, y)-th antenna in planar array antenna.

technique is to concentrate the signal power on the narrow spatial region^1. One of the notable characteristics of the THz communications is that the Rayleigh distance, the boundary between the near-field and far-field, is fairly large. The Rayleigh distance is formally defined as Z =^{2D2}_{λc} , where D is the array aperture (i.e., maximum physical length of array antenna) and λ_c is the wavelength of the carrier [16]. Since the number of antenna arrays and the carrier frequency of the THz systems are far larger than those of the conventional mmWave systems, one can easily see that the Rayleigh distance Z of THz systems is much longer than that of mmWave systems. Note also that the electromagnetic signal in a near-field region is propagated in the form of a spherical wave so that the channel expressed by the far-field array response vector corresponding to the planar wavefront cannot reflect the THz channel properly.

To handle the problem, we need to carefully re-define the THz channel model in the near-field region. Let r_{x,y} be the distance from the (x, y)-th antenna of a planar array to the mobile, then the

1Based on Friis’ law, signal attenuation is proportional to the square of the carrier frequency.

time delay between the signals transmitted from the (x, y)-th antenna and the (1, 1)-th antenna (reference antenna) is^{Δrx,y}_c where Δr_{x,y} = r_{x,y} − r and r = r_{1,1} is the distance between the reference antenna and the mobile. Also, the corresponding phase shift in the frequency-domain is given by e^{j2πfc Δrx,y}c = e^{jπ Δrx,y}d where f_c is the subcarrier frequency, d is the antenna spacing, c = f_cλ_c and d =^{λc}_2 .

In the conventional far-field channel where the signals are transmitted in parallel to the antenna elements, Δr_{x,y} is expressed as

Δr^{(far)}_{x,y} = −(x − 1)d cos θ_{az} sin θ_{el} − (y − 1)d sin θ_{az} sin θ_{el} (5) = −(x − 1)dθ − (y − 1)dϕ, (6) where θ = cos θ_{az} sin θ_{el} and ϕ = sin θ_{az} sin θ_{el}. Then, the far-field planar array response vector can be expressed as a function of channel angle components θ and ϕ:

a_{far}(θ, ϕ) = [ e^{jπ Δr} (far) 1,1 d , · · · , e^{jπ} Δr (far) Nx,Ny d ]_T (7) = [1, · · · , e^{−jπ((Nx−1)θ+(Ny −1)ϕ)}]^T (8) = a_{far,x}(θ) ⊗ a_{far,y}(ϕ), (9)

where a_{far,x}(θ) = [1, · · · , e^{−jπ(Nx−1)θ}]^T and a_{far,y}(ϕ) = [1, · · · , e^{−jπ(Ny−1)ϕ}]^T .

In the near-field channel, Δr_{x,y} depends on both angle and distance due to the spherical radiation wavefront (see Fig. 3). To be specific, when we consider the spherical coordinate system where the position of reference antenna r_{1,1} is set to (0, 0, 0), then the coordinates of the (x, y)-th antenna and the mobile are ((x − 1)d, (y − 1)d, 0) and (r cos θ_{az} sin θ_{el}, r sin θ_{az} sin θ_{el}, r cos θ_{el}), respectively. Thus, Δr_{x,y} is given by

Δr^{(near)}_{x,y} = √ (r cos θ_{az} sin θ_{el} − (x − 1)d)^2 + (r sin θ_{az} sin θ_{el} − (y − 1)d)^2 + (r cos θ_{el})^2 − r ≈ −((x − 1)d cos θ_{az} sin θ_{el} + (y − 1)d sin θ_{az} sin θ_{el}) (10) + d^2 2r ((x − 1)^2 + (y − 1)^2 − ((x − 1) cos θ_{az} sin θ_{el} + (y − 1) sin θ_{az} sin θ_{el})^2) = −((x − 1)dθ + (y − 1)dϕ) Δr^{(far)}_{x,y} + d^2 2r ((x − 1)^2 + (y − 1)^2 − ((x − 1)θ + (y − 1)ϕ)^2),

(11) where the approximation in (10) is obtained by the second order Taylor expansion (i.e., √ 1 + x ≈ 1 +^x_2 −^{x2}_8 ). Note, in contrast to the far-field array response model in (9), the distance difference

Δr^{(near)}_{x,y} contains the distance r between the UE and BS. By exploiting (9) and (11), the near-field array response vector of (x, y)-th antenna can be expressed as

a_{near}(r, θ, ϕ) = [ e^{jπ Δr} (near) 1,1 d , · · · , e^{jπ} Δr (near) Nx,Ny d ]_T (12) = D(r, θ, ϕ)a_{far}(θ, ϕ), (13)

where D(r, θ, ϕ) = diag(1, · · · , e^{jπ d}2r^{((Nx−1)2+(Ny −1)2−((Nx−1)θ+(Ny −1)ϕ)2 )}) is the phase shift matrix induced by the spherical propagation of near-field signal.

In this work, we use the block-fading near-field LoS channel model where the downlink channel matrix H[k] ∈ C^{NT ×NR} from the BS to the mobile for k-th subcarrier is expressed as^2

H[k] = αe^{−j2π rc kfs} a_{near}(r, θ_R, ϕ_R)a^H_{near}(r, θ_T , ϕ_T ) (14)

where α is the complex path gain for path gain, r is the distance between the BS and the mobile, θ_R, ϕ_R, θ_T , and ϕ_T are channel angles of AoD and AoA, respectively. Also, c is light speed, and f_s is subcarrier spacing. One can see that H[k] is parametrized by a few channel parameters: AoAs {θ_R, ϕ_R}, AoDs {θ_T , ϕ_T }, distance r, and path gains α. Typically, the number of propagation paths is much smaller than the total number of antennas N = N_T × N_R (e.g., one or two propagation paths and N = 16 ∼ 256) due to the high path loss and directivity of THz signal. Since the THz channel is modeled by a small number of paths and each path consists of a few channel parameters, one can effectively estimate the channel by estimating sparse parameters {θ_R, ϕ_R, θ_T , ϕ_T , r, α} instead of the full-dimensional MIMO channel matrix H[k].

C. Conventional THz MIMO Channel Estimation

In the conventional THz MIMO channel estimation strategy, the full-dimensional channel matrix H[k] is estimated from Y[k] using the LS or LMMSE techniques. Let ỹ[k] = vec(Y[k]) and h[k] = vec(H[k]), then the LMMSE-based channel estimate is ĥ[k] = Cov(h[k], ỹ[k])Cov(ỹ[k], ỹ[k])^{−1}ỹ[k]. To guarantee the accurate estimation of h[k], the number of measurements should be larger than or equal to the number of antenna elements. However, in the practical THz systems, it is very difficult to acquire sufficient amount of measurements due to the large number of

2Note that in the THz communication systems, due to the significant path loss and directivity of THz band, the LoS component is dominant among the THz channel paths.

antennas. For example, when the numbers of antennas at the BS and UE are N_T = 32 and N_R = 8, we need to allocate 2 subframes for the pilot transmission which occupies more than 15 % of a frame in 5G NR.

As an approach to address the problem, CS-based channel estimation technique has been widely used [11]. In this approach, by mapping the complex gains to the sparse (path gain) vector, one can convert the channel estimation problem to the sparse recovery problem:

ỹ[k] = ((FS[k])^T ⊗ W^H)h[k] + vec(N[k]) (15) ≈ ((FS[k])^T ⊗ W^H)Ag[k] + n[k], (16) = Φ[k]g[k] + n[k], (17)

where Φ[k] = ((FS[k])^T ⊗ W^H)A is the sensing matrix, A = [a^H_T (ϕ̄_1) ⊗ a_R(θ̄_1), · · · , a^H_T (ϕ̄_W ) ⊗ a_R(θ̄_W )] ∈ C^{NT NR×W} is the array steering matrix, g[k] ∈ C^{W ×1} is the sparse path gain vector, and {θ̄_w, ϕ̄_w}^W_{w=1} is the set of quantized angles.

While the CS-based scheme is effective in dealing with the sparsity of the THz channel [11], efficacy of the approach might be degraded in practical scenarios since there exists a mismatch between the true angle and the quantized angle. One can try to reduce this mismatch by increasing the quantization level of an angle, but such trial will increase the column dimension of the sensing matrix Φ[k], making the system model underdetermined. In this underdetermined scenario where the number of unknown variables is far larger than the measurement size, the level of column correlation (e.g., mutual coherence of Φ[k]) will increase dramatically^3, degrading the CS-based channel estimation quality severely.

III. DEEP LEARNING-AIDED CHANNEL PARAMETER ESTIMATION USING LONG SHORT-TERM MEMORY Main idea of D-STiCE is to estimate the sparse channel parameters using the DL technique.

In our task, we exploit the fact that the THz channel is LoS dominant due to the severe signal

3The mutual coherence μ(Φ) is defined as the largest magnitude of normalized inner product between two distinct columns of Φ:

μ(Φ) = max_{i≠j} | ⟨Φi, Φj ⟩ | ‖Φi‖2‖Φj ‖2 When the mutual coherence of two columns of Φ is large and only one of these is associated with the nonzeros values in sparse vector g, then it might not be easy to distinguish the right column (column associated with the nonzero value) from wrong one in the presence of noise.

Fig. 4. Example of time scale of channel parameters. In this example, coherence time interval of large-scale parameter (beam coherence interval) and small-scale parameter (channel coherence interval) is 20ms and 2ms, respectively.

attenuation in NLoS paths. Therefore, what we need to do is to find a few parameters representing the LoS path in the spherical domain. In order to facilitate the estimation of different types of channel parameters having distinct coherence time, we propose two step estimation process: 1) large-scale channel parameter extraction and 2) small-scale path gain estimation. Large-scale parameters including the distance and angles are extracted via the LSTM network in a relatively long time interval (i.e., beam coherence interval)^4. Since the (continuous) movement of a mobile has a good temporal correlation over time, the large-scale parameters can be readily inferred from the LSTM network. By learning the temporal correlation between the 3D spherical coordinates (which are implicitly contained in the pilot measurements), D-STiCE can extract the large-scale near-field channel parameters accurately. After identifying the large-scale parameters, we then update the small-scale (instantaneous) parameters during the beam coherence time. The smallscale parameters are estimated via the conventional estimation technique (e.g., LS or LMMSE) in a channel coherence interval (see Fig. 4).

A. LSTM-based Large-scale Channel Parameter Estimation in Beam Coherence Time In the large-scale channel parameter estimation, we exploit the combination of LSTM and fully connected (FC) networks to learn a complicated nonlinear mapping between the received

4In fact, the coherence time of angles and distance is about 40 times larger than that of path gains [17].

Fig. 5. Overall receiver structure of the D-STiCE scheme.

downlink pilot signals (y^1, · · · , y^l) and the large-scale channel parameters (θ^l_R, ϕ^l_R, θ^l_T , ϕ^l_T , r^l):

{θ̂^l_R, ϕ̂^l_R, θ̂^l_T , ϕ̂^l_T , r̂^l} = g(y^1, · · · , y^l; δ), (18)

where δ is the set of weights and biases. The overall block diagram of the D-STiCE network is depicted in Fig. 5.

1) LSTM Network: The LSTM network consists of multiple LSTM cells, and each LSTM cell consists of cell state and three gates, viz., input gate i^l ∈ R^{NL ×1}, forget gate f^l ∈ R^{NL ×1}, and output gate o^l ∈ R^{NL ×1} (see Fig. 6). Using the current input and the previous output, the forget, input, and output gates figure out the information to be removed, written, and read in the cell state. Then, the updated cell state passes through the next LSTM cell sequentially [18].

The gating operations in the l-th LSTM cell are expressed as

i^l = σ(W_iy^l + U_iz^{l−1} + b_i) (19) f^l = σ(W_f y^l + U_f z^{l−1} + b_f ) (20) o^l = σ(W_oy^l + U_oz^{l−1} + b_o), (21)

Fig. 6. Detailed illustration of LSTM network

where σ(x) =^1_{1+e−x} is the sigmoid function, W_i, W_f , W_o ∈ R^{NL ×KMT} are the weight matrices for the input, U_i, U_f , U_o ∈ R^{NL ×NL} are the weight matrices for the previous output, and b_i, b_f , b_o ∈ R^{NL ×1} are the bias vectors of input, forget, and output gate, respectively. Then, the cell state is given by

C^l = f^l ∘ C^{l−1} + i^l ∘ tanh(W_cy^l + U^l_cz^{l−1} + b_c), (22)

where W_c ∈ R^{NL ×KMT} and U_c ∈ R^{NL ×NL} are weight matrices, b_c ∈ R^{NL ×1} is the bias, ∘ is the element-wise product, and tanh is hyperbolic tangent function. Finally, the output of LSTM network z^l ∈ R^{NL ×1} is given by

z^l = o^l ∘ tanh(C^l). (23)

The forget, input, and output gates can be regarded as valves that regulate the delivery of cell state based on the temporal correlation ρ between the past and current near-field array steering vectors (i.e., ρ = ⟨a_{near}(r^{l−1}, θ^{l−1}, ϕ^{l−1}), a_{near}(r^l, θ^l, ϕ^l)⟩). For example, in scenarios where the mobility of a mobile device is low, temporal correlation of the large-scale parameters will be high (i.e., ρ ≈ 1). In this case, current channel parameters {θ^l_R, ϕ^l_R} are strongly affected by the past channel parameters {θ^{l−1}_R , ϕ^{l−1}_R , θ^{l−1}_T , ϕ^{l−1}_T , r^{l−1}}, meaning that the forget gate vector f^l would be close to zero vector and the input gate would be close to one vector. This helps the delivery of the previous cell state c^{l−1} containing the large-scale channel parameter information of past time slot (i.e., previous 3D spherical coordinates) to the current cell state c^l. Whereas, when the mobility of a mobile is high, the temporal correlation of the large-scale channel parameters is low (i.e., ρ ≈ 0) so that it is desirable to focus only on the most recent pilot measurements. In this case, learning process will enforce the forget and input gates such that these values will be close to one and zero, respectively.

We note that the similar effect can be obtained using Transformer, an architecture specialized for extracting the correlation between inputs via attention mechanism. Basically, Transformer and LSTM have been widely used to extract the temporal correlation of the input sequences (in our case, correlation of the geometric channel parameters over time). While both techniques are similar in spirit, LSTM can be more effective in dealing with sequentially correlated inputs. These days, Transformer is popularly used but it requires a large amount of memory and computationally intensive attention mechanism to handle both long and short-term correlations in tasks such as natural language processing (NLP) and speech recognition [19], [20]. Since the LSTM network depends only on the output of the previous time step and the current measurement, the LSTM network can be implemented with much smaller memory space and simple hardware architecture. Considering the memory overhead and stringent power constraint of the on-device AI as well as the design simplicity, LSTM can be a cost-effective choice.

2) FC Network: After the LSTM network, the FC network is employed to convert the extracted temporal channel features (LSTM output z^l) into large-scale channel parameters {θ^l_R, ϕ^l_R, θ^l_T , ϕ^l_T , r^l}. The FC network consists of an input layer, hidden layers, and output layer. The output x^0 of the input layer is expressed as

x^0 = W^0z^l + b^0, (24)

where z^l is output vector of the LSTM network (see (23)), W^0 ∈ R^{NF ×NL} is the weight matrix, and b^0 ∈ R^{NF ×1} is the bias vector of the input layer, respectively. We use the batch normalization layer on x^0 following the FC layer to obtain model parameters that are robust to signal distortion and noise. Let B = [x^{0,1}, · · · , x^{0,d}, · · · , x^{0,D}]^T be the stacked output vectors of the first FC layer, then the output vector ~x^{0,d} of the batch normalization layer is [21] ~x^{0,d}_i = γ ( x^{0,d}_i − μ_{B,i} √ σ^2_{B,i} ) + β, (25) where μ_{B,i} =^1_D ∑_D d=1 z^{l,d}_i and σ^2_{B,i} =^1_D ∑_D d=1(z^{l,d}_i − μ_{B,i})^2 are mini-batch-wise mean and variance, respectively, γ is the scaling parameter, β is the shifting parameter, and D is batch size. As mentioned, the main purpose of using LSTM in D-STiCE is to learn a temporal variation of the large-scale channel parameters (r, θ, ϕ) in the THz environments, not the random fluctuation in the complex gain α. To promote such behavior, we average out the small variations and distortions (e.g., Doppler shift, shadowing) in the pilot measurement y using the batch normalization process (see (25)).

After the batch normalization, the output vector x̌^0 = f_{leaky-ReLU}(~x^0) is generated by passing through the leaky rectified linear unit (leaky-ReLU) layer f_{leaky-ReLU} = max(0.1x, x). Then, the output vector x̌^0 passes through N_m hidden layers consisting of the FC layer, batch normalization layer, and leaky-ReLU layer. The output of the i-th hidden layer (i = 1, · · · , N_m) can be expressed as

x̌^i = f_{leaky-ReLU} ( γ^i ( W^ix̌^{i−1} + b^i − μ √ σ^2 ) + β^i ) , (26)

where W^i ∈ R^{NF ×NF} is the weight matrix and b^i ∈ R^{NF ×1} is the bias vector of i-th hidden layer, respectively. Finally, using the output vector x̌^{Nm} of the last hidden layer, we obtain the large-scale near-field channel parameter estimates {θ^l_R, ϕ^l_R, θ^l_T , ϕ^l_T , r^l}:

{θ̂^l_R, ϕ̂^l_R, θ̂^l_T , ϕ̂^l_T , r̂^l} = tanh(W^{out}x̌^{NM} + b^{out}), (27)

where W^{out} ∈ R^{5×NF} is weight vector, and b^{out} ∈ R^{5×1} is bias vector of output layer, respectively^5.

B. Small-scale Channel Parameter Estimation in Channel Coherence Time

Once the large-scale channel parameters are extracted, we estimate the small-scale channel parameters using a simple linear estimation technique. After this, using both large-scale and small-scale channel parameters, we reconstruct the full-dimensional THz MIMO channel matrix H, using which one can perform the channel equalization, log-likelihood ratio (LLR) generation, and packet decoding at the UE side (see Fig. 5). While LSTM is effective in extracting the temporal correlation of the large-scale channel components, it might not be a good fit for

5Since the channel AoAs {θR, ϕR} and AoDs {θT , ϕT } are parameters of the periodic function, the output values should be limited in range to ensure one-to-one mapping. In D-STiCE, we use the hyperbolic tangent function to limit the output and scale the channel parameters in the range (−1, 1).

estimating the small-scale channel parameters behaving like an independent and identically distributed (i.i.d.) random variable.

To be specific, after obtaining the large-scale channel parameters {θ̂^l_R, ϕ̂^l_R, θ̂^l_T , ϕ̂^l_T , r̂^l}, we estimate the small-scale channel parameter using the conventional linear estimation technique. Recall that the received pilot signal matrix of k-th pilot subcarrier is expressed as

Y^l[k] = W^HH^l[k]FS[k] + N^l[k], ∀k ∈ K. (28)

By vectorizing Y^l[k] into ỹ^l[k], we have

ỹ^l[k] = vec(Y^l[k]) = α^le^{−j2πkfs r̂lc} (a^H_{near}(r̂^l, θ̂^l_T , ϕ̂^l_T )FS[k])^T ⊗ W^Ha_{near}(r̂^l, θ̂^l_R, ϕ̂^l_R) + vec(N^l[k]) = α^le^{−j2πkfs r̂lc} Φ[k] + n^l[k], (29) where Φ[k] = (a^H_{near}(r̂, θ̂^l_T , ϕ̂^l_T )FS[k])^T ⊗ W^Ha_{near}(r̂, θ̂^l_R, ϕ̂^l_R) is the system matrix and n^l[k] is the vectorized noise vector. Under this setting, the linear (e.g., LS and LMMSE) estimate of path gain vector α^l is α̂^l = e^{j2πkfs r̂lc} (Φ[k]^HΦ[k])^{−1}Φ[k]^Hỹ^l[k]. (30)

Finally, by substituting the acquired channel parameters {θ̂^l_R, ϕ̂^l_R, θ̂^l_T , ϕ̂^l_T , r̂^l, α̂^l} into the nearfield THz MIMO channel model (14), we obtain the full-dimensional channel matrix ^H[k]: ^H^l[k] = α̂e^{−j2πkf}s^{r̂}c a_{near}(r̂^l, θ̂^l_R, ϕ̂^l_R)a^H_{near}(r̂^l, θ̂^l_T , ϕ̂^l_T ). (31)

C. Loss Function Design and Training of D-STiCE

In order to estimate the near-field channel parameters {θ̂^l_R, ϕ̂^l_R, θ̂^l_T , ϕ̂^l_T , r̂^l, α̂^l}, we design the deep neural network (DNN) such that the channel estimate ^H^l[k] in (31) is as close as possible to the true channel matrix H^l[k]. To this end, we use MSE-based loss function J_δ as

J_δ = 1 L L∑ l=1 K∑ k=1 ‖H^l[k] − ^H^l[k; δ]‖^2_F , (32)

where L and K are the number of coherence intervals and the number of subcarriers, respectively. Here, we express ^H^l[k] as ^H^l[k; δ] to clearly identify that the channel estimate is parameterized by the DNN parameters δ. In our work, we obtain the ground-truth channel H^l[k] by collecting the channel samples generated from the realistic near-field THz MIMO downlink simulator (we will say more on this in Section V). One might question that the synthetically generated channel might be different from the actual channel since the channel realizations can be changed by various factors such as temperature, humidity, and oxygen/foliage absorption. Fortunately, we can circumvent this issue since the THz channel mainly consists of geometric parameters so that small variations can be readily considered as a small-scale parameter.

During the training phase, D-STiCE parameters δ are updated using the loss function in (32). Specifically, we update the parameter δ using the gradient descent method [22]: δ_j = δ_{j−1} − μ L∑ l=1 ▽_δJ^l_δ, (33)

where j is training iteration, δ_j is the D-STiCE parameter of j-th iteration, and μ is the learning rate determining the amount of step to be updated in each iteration. To guarantee the near-field THz channel estimation performance, we train D-STiCE until the absolute fractional difference of the loss J_δ is smaller than the predefined threshold (e.g., | | | | J_{δj} −J_{δj−1} J_{δj−1} | | | | < ϵ = 0.0001).

D. Complexity Analysis

In this subsection, we briefly analyze the computational complexity of D-STiCE in the test phase. In our analysis, we measure the complexity in terms of the number of floating point operations (flops).

Initially, in the LSTM cell, an input vector y^l is multiplied by the weights {W_f , W_i, W_o, W_c} (see (19)-(22)). Since the complex-valued matrix multiplication and bias addition operations are performed by dividing these operations in real and imaginary parts, the complexity of the aforementioned operations C_{cell1} is 4(4KMT −1)N_L = 16KMT N_L −4N_L. In a similar manner, the complexity C_{cell2} of the matrix multiplications between z^{l−1} ∈ R^{NL} and {U_f , U_i, U_o, U_c} ∈ R^{NL ×NL} can be expressed as

C_{cell2} = 4(4N_L − 1)N_L = 16N^2_L − 4N_L. (34)

Then, the bias additions (N_L flops), sigmoid operations (4N_L flops), tanh operations (7N_L flops), element-wise multiplication (N_L flops), and element-wise addition (N_L flops) are performed 4 times, 3 times, 2 times, 3 times, and once, respectively (see (19)-(23)). Using (34) and the operations we just mentioned, the complexity of the L LSTM cells C_{LST M} can be expressed as

C_{LST M} = L(C_{cell1} + C_{cell2} + 34N_L) (35) = L(16KMT N_L + 16N^2_L − 8N_L + 34N_L) (36) = 16LN^2_L + (16LKMT + 26L)N_L. (37)

After passing through L LSTM cells, the weight multiplication and bias addition are performed in the FC layer (see (24)). Since W^0 ∈ R^{NF ×NL} and b^0 ∈ R^{NF ×1}, the complexity C_{in} of the initial FC layer is

C_{in} = (2N_L − 1)N_F + N_F = 2N_LN_F . (38)

Next, since the element-wise scalar multiplication (N_F flops) and addition (N_F flops) are performed twice in the batch normalization process before the leaky-ReLU function (N_F flops), the complexity C_{in2} of the corresponding operations is simply

C_{in2} = 5N_F . (39)

In the hidden layer, an input vector is multiplied by the weight W^i ∈ R^{NF ×NF} and the bias b^i ∈ R^{NF ×1} is added. Then, the batch normalization (4N_F flops) and leaky-ReLU operation (N_F flops) are performed. Therefore, the complexity C_{hide} of N_m hidden layers can be expressed as

C_{hide} = N_m · ((2N_F − 1)N_F + N_F + 5N_F ) = 2N_mN^2_F + 5N_mN_F . (40)

Finally, in the last hidden layer, channel parameter estimates are extracted by multiplying the weight matrix W^{out} ∈ R^{4P ×NF} and then adding a bias vector b^{out} ∈ R^{4P ×1} to x̌^{Nm} , where P is the number of channel paths. The complexity C_{out} of the last FC layer is

C_{out} = (2N_F − 1)4P + 4P = 8P N_F . (41)

From (37) to (41), the complexity C_{D−ST iCE} of D-STiCE is summarized as C_{D−ST iCE} = C_{LST M} + L · (C_{in} + C_{in2} + C_{hide} + C_{out}) (42) = 16LN^2_L + 2N_mN^2_F + (16LKMT + 26L)N_L + (5N_m + 2N_L + 8P + 5)N_F . (43)

In Table I, we compare the computational complexities of D-STiCE, CS-based channel estimation, and CNN-based channel estimation (see Appendix A for the detailed complexity derivation). In order to examine the overall behavior, we compute the required flops for various numbers of antennas. We observe that the complexity of D-STiCE is much smaller than that of conventional approaches. For example, when N_T = 32 and N_R = 4, the complexity of D-STiCE is 50% and 70% lower than those of CS-based channel estimation and CNN-based channel estimation, respectively. It is worth mentioning that the complexity of D-STiCE depends heavily on the dimension of the network parameters (N_L and N_F ), not the system parameters (N_T and N_R). For instance, when N_T increases from 16 to 64, the number of flops of CNN-based channel

TABLE I COMPARISON OF COMPUTATIONAL COMPLEXITY (K = 64, L = 10, NL = 500, Nm = 2, NF = 500, P = 3, W = NT NR, M =^{NT}_2 , T =^{NR}_2 , C1 = 64, C2 = 3, C3 = 10)

the number of floating point operations (flops)

Complexity for various (NT , NR) (16, 4) (32, 4) (32, 8)

D-STiCE

16LN^2_L + 2NmN^2_F + (16LKMT + 26L)NL 3.34 × 10^8 3.34 × 10^8 3.34 × 10^8 +(5Nm + 2NL + 8P + 5)NF CS ( 2P W +^{P 4}_{12} +^5_{18} P^3 +^{47}_{36} P^2 + P ) KLMT 4.96 × 10^8 8.51 × 10^8 1.30 × 10^9

CNN (8C1C^2_2 + 2C^2_1 C^2_2 C3)KLNRNT 1.19 × 10^9 3.11 × 10^9 6.74 × 10^9

estimation increases by 70% but that for D-STiCE remains unchanged. Thus, in the practical massive MIMO scenario where the numbers of transmit and receive antennas are large, the D-STiCE scheme still maintains a reasonable computational complexity.

IV. PRACTICAL ISSUES FOR D-STICE IMPLEMENTATION In this section, we go over two practical issues in the D-STiCE implementation. We first discuss the training data collection issue. This issue is crucial since collecting a large amount of training data (i.e., THz channel) covering all the physical location (r, θ, ϕ) is very difficult in terms of energy and time-frequency resources. We next discuss an environment compatibility issue. If we re-train the D-STiCE whenever the wireless environment changes (e.g., indoor to outdoor and urban to rural), computational overhead and time for the re-training would be excessive, limiting the applicability of D-STiCE.

A. Training Data Acquisition

In order to acquire the optimal D-STiCE parameters δ^∗, a large amount of training channel and pilot measurement samples are required. However, in the THz MIMO system, it is very difficult to collect an abundant amount of real samples. For instance, when we collect the channel measurements from the 5G NR system in a brute-force manner, it might take several days or weeks to collect measurements covering distinct scenarios (e.g., indoor/outdoor, urban/rural, and

Fig. 7. Illustration of GAN-based realistic channel data collection

high speed/low speed). Therefore, direct collection of real data might not be practical in terms of latency, resource utilization efficiency, and energy consumption.

As an answer to the problem at hand, we use a synthetically generated training dataset in this work. Specifically, we generate the training data samples using the THz MIMO downlink simulator where mobile users are randomly distributed [23]. By applying a realistic path loss model and geometric modeling for the synthetic data generation (we will say more on this in Section V), we can alleviate the mismatch between the real and synthetically generated datasets.

One can also question that the use of synthetic data might not be sufficient to validate the direct applicability of D-STiCE in the real-world scenario. For example, relying solely on synthetic data from system models or ray-tracing simulators can induce channel mismatch since manually designed simulators cannot completely reflect the details of the real-world (e.g., moving obstacles and material properties). To address this potential problem, we exploit a generative adversarial network (GAN)-based dataset generation approach to generate massive real-like samples from the real ones [24]. Note that GAN is a DL model that generates the samples approximating the input dataset (in our case, real measured THz MIMO channel matrix H) [25]. The main components of GAN are a pair of DNNs, namely the generator G and the discriminator D (see Fig. 7). In our case, G tries to generate real-like near-field THz channel samples G(z) from the random noise z and D tries to distinguish whether the generated channel G(z) is real or

Fig. 8. Evaluations of channel path gain as a function of GAN training iterations. We generate the channel data for f = 28, 37, 41, and 60 GHz in every 100 iterations.

fake channel, respectively. To train the GAN, we can adversarially train two DNNs using the min-max loss function, expressed as the cross-entropy^6 between the distribution of generator output G(z) and that of the real channel data H:

min_G max_D E_H [log(D(H))] + E_z [log(1 − D(G(z)))], (44) where D(H) is the discriminator output which corresponds to the probability of H being real (non-fake). In doing so, when the training of GAN-based data generation is finished properly, the discriminator cannot evaluate whether the generated channel sample G(z) is the generic or the synthetic (i.e., D(G(z)) ≈ 0.5), which means that the generated THz channel sample is reliable and thus one can readily use the generated channel matrix H for the training of D-STiCE. In particular, when compared to the manually designed channel models, GAN-based channel samples well represent complicated channel characteristics (e.g., foliage loss, atmospheric absorption, and cluttering density), so that GAN-based samples can be readily used for the D-STiCE training.

In order to briefly show the similarity between the GAN-based dataset and real one, we measure the path gains of the GAN-based channel samples and those of the real channel samples

6The cross-entropy between x and x̂ is defined as H(x, x̂) = −x log(x̂) − (1 − x) log(1 − x̂).

as a function of the training iteration (see Fig. 8). In our numerical evaluations, we generate the narrowband geometric channel samples for the various center frequencies including f = 28, 37, 41, and 60 GHz. Specifically, the propagation channel model h ∈ C^{Nt ×1} is expressed as h = √ N_t L L∑ l=1 ρ_la(θ_l), (45) ρ_l ∼ CN (0, C) = CN (0, P_0 f^2R^2

), (46)

a(θ_l) = 1 N_t [ 1, e^{jθl} , · · · , e^{j(Nt−1)θl} ]_T , (47) where ρ_l, C, P_0, f, R, θ_l, a, and L are the complex gain, distance-dependent path loss, power gain, center frequency, distance, AoD, transmit array response vector associated with the l-th propagation path, and the number of paths, respectively. One can readily observe from (46) that the channels at different center frequencies follow distinct path gain distributions. As shown in Fig. 8, we observe that the path gains of the GAN-based channels converge to those of the model-based channels for all center frequencies f = 28, 37, 41, and 60 GHz as the training iteration increases. For example, the average path gain of the 28 GHz channel data becomes 0.98 after 100,000 iterations, which is very close to the path gain of the benchmark, 1.1274.

B. Environment Compatibility Issue

Yet another practical issue is the environment compatibility. Due to the high penetration loss and movement of mobile devices or obstacles in the THz propagation environment, wireless channel characteristics between the BS and UE can be changed occasionally. For example, when the UE moves from indoor to outdoor, distribution of the communication distance r (e.g., 5 m in the indoor room and 20 m in the outdoor on average) and blockage ratio changes considerably so that the D-STiCE needs to be re-trained to deal with the changed scenario. This issue is crucial for D-STiCE since the re-training in each environment will not be handy and incur the waste of energy, resources, and time.

To address the issue, we exploit the meta-learning, a special DL technique to solve new task with only a small number of training samples (in our case, pilot measurements) [26]. Essence of the meta-learning is to acquire the pre-trained model and then quickly train the desired function with a few training samples [27]. So, as long as we have a pre-trained model which already learned the common channel characteristics (e.g., parametric sparsity in the 3D spherical domain, temporal correlation of (r, θ, ϕ), LoS-dominant property), we can significantly reduce

Fig. 9. Illustration of simulation environment. In our simulation, the UE are distributed within 10 m around the BS. The mobile user moves along the line trajectory with a constant speed of 3 km/h.

the required number of THz near-field channel samples. Since what should be done for the new wireless environment is to learn the distinct channel features (e.g., distance and angle change) describing a new environment (this process is often called fine-tuning), we can save the effort to re-train the whole model parameters δ.

Basically, the meta-learning process for D-STiCE consists of two main steps: 1) temporal update of the D-STiCE parameters for given datasets and 2) identification of the centroid of the temporarily updated D-STiCE parameters. In each iteration, we first temporarily update the D- STiCE parameters {~δ_{Di,t}}^M_{i=1} for each given M datasets {D_i}_{i=1,··· ,M} . To update the pre-trained model parameter δ, we evaluate the loss of each dataset J^{Di}_{~δDi,t} with respect to temporally updated D-STiCE parameters. We then update the D-STiCE parameters δ in a direction to minimize the sum of losses ∑_M i=1 J^{Di}_{~δDi,t} . In doing so, we obtain the pre-trained model of D-STiCE that learns the common channel characteristics in the M datasets {D_i}^M_{i=1}. In the fine-tuning phase, we can use δ as an initialization point of D-STiCE, using which one can quickly learn the parametric near-field channel estimation in a new THz dataset D_{M+1}.

V. SIMULATIONS AND DISCUSSIONS A. Simulation Setup

In this section, we investigate the performance of D-STiCE. In our simulations, we consider the near-field THz MIMO systems with 1 THz frequency band where the BS and UE are equipped with N_T = 64 and N_R = 16 antennas, respectively. We set the number of RF chains to N_{RF} = 4 and the antenna spacing to d =^λ_2 for both the BS and UE. Following 5G NR standard, we set the subcarrier spacing to f_s = 120 KHz [15]. We also set the numbers of pilot subcarriers, time frames, and sub-frames to K = 4, M = 16, and T = 16, in each channel coherence interval^7. The number of large-scale beam coherence intervals is L = 5. In our simulations, we use the beamforming matrix F and the combiner matrix W consisting of steering vectors that equally space the angle in the interval (−π/2, π/2]. To model the channel variation over the time, the UE moves along the line trajectory with a constant speed (3 km/h). We assume that the smallscale channel parameter α is independently and identically distributed (i.i.d.) complex Gaussian random variable.

In the simulations of D-STiCE, we generate 200 K, 10 K, and 10 K samples for the training, validation, and testing, respectively. The channel samples are generated using (14). In the training process, we use an Adam optimizer with learning rate 10^{−4}. As performance metrics, we use the NMSE= ‖H − ^H‖^2_F /‖H‖^2_F and BER. For comparison, we use five benchmark schemes: 1) LS estimator, 2) LMMSE estimator, 3) CS-based channel estimation [28], 4) CNN-based channel estimation [29], and 5) Transformer-based channel estimation. To ensure the fairness of the computational complexity, we set the similar level of computational overhead for the Transformer-based channel estimation and proposed D-STiCE. Specifically, we use 5 cell states and 2 vertical hidden layers for the LSTM network and 2 hidden layers for the FC network. The number of hidden layer units in LSTM cell and FC network N_L and N_F are set to 576. Also, we use 5 blocks of Transformer encoder consisting of 16 multi-heads and 1,216 dimensions for embedding.

B. Simulation Results

In Fig. 10, we plot the NMSE of D-STiCE and competing schemes as the function of SNR. We observe that D-STiCE outperforms the conventional channel estimation algorithms by a large margin, especially in high SNR regime. For example, when SNR = 20 dB, the NMSE of D-STiCE is less than 0.2 while those of the conventional linear estimator (i.e., LS, LMMSE estimator),

7Note that our simulation parameters are designed by considering both the channel coherence time and beam training time. In our scenario where the user is moving at 3 km/h in the 1 THz frequency band, the channel coherence time is approximately given by 152.3 μs. Since the symbol duration under the setting of 120 kHz subcarrier spacing is approximately 9 μs, one can transmit 16 symbols (approximately 144 μs) for the downlink beam training within one channel coherence time.

Fig. 10. Normalized MSE performance of channel estimation techniques as function of SNR.

CS-based estimator, and the CNN-based estimator are 0.7, 0.5, and 0.4, respectively. While the trained D-STiCE exploits the sparsity of the spherical domain channel and thus it can accurately estimate the channel in the limited pilot scenario, conventional LS and MMSE techniques have no such mechanism so that the performance of these schemes is not that appealing. We show that the performance of D-STiCE is even better than that of the CNN-based approach in the high SNR regime since D-STiCE can effectively leverage the temporal correlation between the past and current channel parameters to narrow down the range of the angle (and distance) search. One can also see that the performance of D-STiCE and Transformer-based channel estimation is more or less similar. Since the large-scale channel parameters are highly correlated to the adjacent measurements rather than the old ones, there should be no fundamental difference between two.

To measure the impact of D-STiCE on the overall system performance, we next evaluate the BER performance. Since our purpose is to check the channel estimation quality, we use a simple setup to detect the QPSK symbols using hard decision decoding after the channel estimation. As shown in Fig. 11, D-STiCE achieves more than 3 dB gain for all SNR regimes. For instance, when compared to the BER performance at SNR = 20 dB, D-STiCE achieves more than one order of magnitude improvement in BER over the conventional channel estimation techniques.

Fig. 11. BER performance of channel estimation techniques as function of SNR.

In Fig. 12, we evaluate the MSE loss of D-STiCE as a function of the training iterations. From the simulation results, we observe that the MSE loss of D-STiCE decreases gradually and finally converges. For example, the MSE loss converges to 0.12 at the SNR = 15 dB after 100,000 training iterations. We also observe that the MSE loss is further reduced when the SNR increases. For instance, the MSE loss converges to 0.5 in 0 dB and while that in 15 dB converges to 0.12. We note that this behavior is reasonable since the accurate estimation of large-scale parameters will do good for the small-scale parameter estimation.

In Fig. 13, we plot the BER performance as a function of the ratio between the number of received pilot signals and full-channel coefficients (i.e., ratio =^{MT}_{NRNT} ). From the simulation results, we observe that D-STiCE outperforms the conventional channel estimation schemes by a large margin even when the number of pilot measurements is less than 0.25 of the full-channel coefficients. For example, when compared to the linear, CS-based, and CNN-based channel estimators, D-STiCE requires less than half of the pilot signals at BER = 0.05 because the D-STiCE just requires a few sparse parameters {θ̂^l_R, ϕ̂^l_R, θ̂^l_T , ϕ̂^l_T , r̂^l, α̂^l} to reconstruct the fullchannel (see Section III.A). Since there is no such mechanism for the conventional channel estimation techniques, the conventional schemes perform well only when the number of pilots

Fig. 12. Training loss of D-STiCE as a function of training iterations. We evaluate the MSE loss every 100 iterations.

Fig. 13. BER performance of channel estimation schemes as function of ratio between received pilot dimension and channel dimension. In this simulation, we fix the SNR as 15dB.

is large enough.

VI. CONCLUSION In this paper, we proposed a DL-based parametric channel estimation technique for the nearfield THz MIMO systems. Using the property that the near-field THz channel can be expressed as a few channel parameters in the spherical domain, viz., AoDs, AoAs, distance, and path gain, the proposed D-STiCE estimates the large-scale sparse channel parameters via LSTM-based DNN. Then, by combining the large-scale parameters (angles and distance) and small-scale path gain parameter, we could reconstruct the THz MIMO channel matrix. From the numerical evaluations in the 6G THz environment, we verified that the proposed D-STiCE is effective in estimating the near-field THz downlink environments. Given the trend of AI technology being actively applied to wireless communication, we believe that D-STiCE will serve as an effective channel estimation framework in the upcoming 6G systems.

APPENDIX A PROOF OF THE COMPUTATIONAL COMPLEXITIES IN TABLE I In this appendix, we analyze the computational complexities of CS-based channel estimation and CNN-based channel estimation in Table I. In the OMP algorithm, a a submatrix Φ_l[k] of Φ[k] having the maximum correlation between the residual vector r^{j−1} is chosen, and g^j [k] is estimated (i.e., ĝ^j [k] = ( Φ[k]^H_{Ωj} Φ[k]_{Ωj} )_{−1} Φ[k]^H_{Ωj} ỹ[k]). Using the Cholesky decomposition, we the complexity of the OMP algorithm is given by C_{OMP} ≈ 2P MT W + P∑ j=1 ( j 3 + MT )j^2 + P∑ j=1 2jMT (48)

= ( 2P W + P^4 12 + 5 18 P^3 + 47 36 P^2 + P ) MT. (49) Since these operations are performed KL times for the channel estimation, the complexity of the CS-based channel estimation C_{CS} is C_{CS} = ( 2P W + P^4 12 + 5 18 P^3 + 47 36 P^2 + P ) KLMT. (50) We next analyze the complexity of CNN-based channel estimation [29]. Noting that the first convolutional output is obtained by multiplying the C_1 different C_2 ×C_2 filters to the real-valued LS channel estimate, the complexity is C_{conv1} = 2 · (C_1N_RN_T ) · 2C^2_2 = 4C_1C^2_2 N_RN_T . (51)

Let C_3 be the number of hidden layers in the CNN, then the complexity of the rest layers is C_{conv2} = 2C^2_1 C^2_2 C_3N_RN_T + 4C_1C^2_2 N_RN_T . (52) Noting that the aforementioned operations are performed KL times for the channel estimation, we have the following complexity of the CNN-based channel estimation: C_{CNN} = (8C_1C^2_2 + 2C^2_1 C^2_2 C_3)KLN_RN_T . (53)

REFERENCES

[1] J. Kim, Y. Ahn, S. Kim, and B. Shim, “Parametric sparse channel estimation using long short-term memory for mmwave massive MIMO systems,” in Proc. IEEE Int. Conf. Commun. (ICC), 2022.

[2] W. Jiang, B. Han, M. A. Habibi, and H. D. Schotten, “The road towards 6G: A comprehensive survey,” IEEE Open J.

Commun. Soc., vol. 2, pp. 334–366, 2021.

[3] L. U. Khan, I. Yaqoob, M. Imran, Z. Han, and C. S. Hong, “6G wireless systems: A vision, architectural elements, and future directions,” IEEE Access, vol. 8, pp. 147 029–147 044, 2020.

[4] L. Bariah, L. Mohjazi, S. Muhaidat, P. C. Sofotasios, G. K. Kurt, H. Yanikomeroglu, and O. A. Dobre, “A prospective look:

Key enabling technologies, applications and open research topics in 6G networks,” IEEE Access, vol. 8, pp. 174 792–174 820, 2020.

[5] C. Han, Y. Wang, Y. Li, Y. Chen, N. A. Abbasi, T. Kürner, and A. F. Molisch, “Terahertz wireless channels: A holistic survey on measurement, modeling, and analysis,” IEEE Commun. Surveys Tuts., vol. 24, no. 3, pp. 1670–1707, 2022.

[6] J. Wu, S. Kim, and B. Shim, “Near-Field Channel Estimation for RIS-Assisted Wideband Terahertz Systems,” in 2022 IEEE Global Commun. Conf. (GLOBECOM), Dec. 2022, pp. 1–6.

[7] B. Ning, Z. Chen, W. Chen, Y. Du, and J. Fang, “Terahertz multi-user massive MIMO with intelligent reflecting surface:

Beam training and hybrid beamforming,” IEEE Trans. Veh. Technol., vol. 70, no. 2, pp. 1376–1393, 2021. [8] S. Park, J. W. Choi, J.-Y. Seol, and B. Shim, “Expectation-maximization-based channel estimation for multiuser MIMO systems,” IEEE Trans. Commun., vol. 65, no. 6, pp. 2397–2410, 2017.

[9] Y. Liu, Z. Tan, H. Hu, L. J. Cimini, and G. Y. Li, “Channel estimation for OFDM,” IEEE Commun. Surveys Tuts., vol. 16, no. 4, pp. 1891–1908, 2014.

[10] S. Coleri, M. Ergen, A. Puri, and A. Bahai, “Channel estimation techniques based on pilot arrangement in OFDM systems,” IEEE Trans. Broadcast., vol. 48, no. 3, pp. 223–229, 2002.

[11] J. W. Choi, B. Shim, Y. Ding, B. Rao, and D. I. Kim, “Compressed sensing for wireless communications: Useful tips and tricks,” IEEE Commun. Surveys Tuts., vol. 19, no. 3, pp. 1527–1550, 2017.

[12] Z. Wan, Z. Gao, B. Shim, K. Yang, G. Mao, and M.-S. Alouini, “Compressive sensing based channel estimation for millimeter-wave full-dimensional MIMO with lens-array,” IEEE Trans. Veh. Technol., vol. 69, no. 2, pp. 2337–2342, 2019.

[13] S. Kwon, J. Wang, and B. Shim, “Multipath matching pursuit,” IEEE Trans. Inf. Theory, vol. 60, no. 5, pp. 2986–3001, 2014.

[14] A. Lee, H. Ju, S. Kim, and B. Shim, “Intelligent near-field channel estimation for terahertz ultra-massive MIMO systems,” in 2022 IEEE Global Commun. Conf. (GLOBECOM), Dec. 2022, pp. 1–6.

[15] 3GPP Technical Specification 38.211, “5G; NR; Physical channels and modulation,” v16.2.0, Jul. 2020. [16] K. T. Selvan and R. Janaswamy, “Fraunhofer and fresnel distances: Unified derivation for aperture antennas,” IEEE Antennas Propag. Mag., vol. 59, no. 4, pp. 12–15, 2017.

[17] A. Adhikary, A. Ashikhmin, and T. L. Marzetta, “Uplink interference reduction in large-scale antenna systems,” IEEE Trans. Commun., vol. 65, no. 5, pp. 2194–2206, 2017.

[18] S. Kim, J. Son, and B. Shim, “Energy-efficient ultra-dense network using LSTM-based deep neural network,” IEEE Trans.

Wireless Commun., vol. 20, no. 7, pp. 4702–4715, 2021.

[19] A. Vaswani, N. Shazeer, N. Parmar, J. Uszkoreit, L. Jones, A. N. Gomez, Ł. Kaiser, and I. Polosukhin, “Attention is all you need,” Adv. Neural Inf. Process. Syst., vol. 30, 2017.

[20] S. Karita, N. Chen, T. Hayashi, T. Hori, H. Inaguma, Z. Jiang, M. Someki, N. E. Y. Soplin, R. Yamamoto, X. Wang et al., “A comparative study on transformer vs rnn in speech applications,” in 2019 IEEE Autom. Speech Recognit. Underst. Workshop (ASRU), 2019, pp. 449–456.

[21] S. Ioffe and C. Szegedy, “Batch normalization: Accelerating deep network training by reducing internal covariate shift,” arXiv preprint arXiv:1502.03167, 2015.

[22] Y. Ahn, W. Kim, and B. Shim, “Active user detection and channel estimation for massive machine-type communication:

Deep learning approach,” IEEE Internet Things J., vol. 9, no. 14, pp. 11 904–11 917, 2021.

[23] 3GPP Technical Report 38.900, “Study on channel model for frequency spectrum above 6 GHz (Release 14),” v14.2.0, Jun. 2017.

[24] I. Goodfellow, J. Pouget-Abadie, M. Mirza, B. Xu, D. Warde-Farley, S. Ozair, A. Courville, and Y. Bengio, “Generative adversarial nets,” Adv. Neural Inf. Proc. Syst., vol. 27, 2014.

[25] W. Kim, Y. Ahn, J. Kim, and B. Shim, “Towards deep learning-aided wireless channel estimation and channel state information feedback for 6G,” J. Commun. Netw., vol. 1, no. 1, pp. 1–15, 2023.

[26] J. Kim, Y. Ahn, and B. Shim, “Massive data generation for deep learning-aided wireless systems using meta learning and generative adversarial network,” IEEE Trans. Veh. Technol., vol. 72, no. 1, pp. 1302–1306, 2022.

[27] C. Finn, P. Abbeel, and S. Levine, “Model-agnostic meta-learning for fast adaptation of deep networks,” in Proc. Int. Conf.

Mach. Learn. (ICML). PMLR, Aug. 2017, pp. 1126–1135.

[28] M. Cui and L. Dai, “Near-field channel estimation for extremely large-scale MIMO with hybrid precoding,” in 2021 IEEE Global Commun. Conf. (GLOBECOM), 2021, pp. 1–6.

[29] P. Dong, H. Zhang, G. Y. Li, I. S. Gaspar, and N. NaderiAlizadeh, “Deep CNN-based channel estimation for mmWave massive MIMO systems,” IEEE J. Sel. Top. Signal Process., vol. 13, no. 5, pp. 989–1000, 2019.

Jinhong Kim (jinhong3.kim@samsung.com) received the B.S. degree from the Department of Electrical and Information Engineering, Seoul National University of Science and Technology, Seoul, Korea, in 2016 and the Ph.D. degree in Electrical and Computer Engineering, SNU, Seoul, Korea, in 2023. Since September 2023, he has been with Samsung Electronics, where he is working for 5G and 6G modem design. His research interests include sparse signal recovery and deep learning techniques for the 6G wireless communications.

Yongjun Ahn (yong jun.ahn@samsung.com) received the B.S. degree from the Department of Electrical and Computer Engineering, Seoul National University (SNU), Seoul, Korea, in 2019, where he received the Ph.D. degree in 2024. Since March 2024, he has been with Samsung Electronics, where he is working for the development of 6G communication technologies. His research interests include 6G wireless communications and deep learning techniques.

Seungnyun Kim (snkim94@mit.edu) received the B.S. degree from the Department of Electrical and Computer Engineering, Seoul National University (SNU), Seoul, Korea, in 2016, where he received the Ph.D. degree in 2023. He is currently a postdoctoral researcher with the Wireless Information and Network Sciences Laboratory, Massachusetts Institute of Technology (MIT), Massachusetts, USA. His research interests include beyond 5G and 6G wireless communications, optimization, and machine learning.

Byonghyo Shim (bshim@snu.ac.kr) received the B.S. and M.S. degrees in Control and Instrumentation Engineering from Seoul National University, South Korea, in 1995 and 1997, respectively, and the M.S. degree in mathematics and the Ph.D. degree in electrical and computer engineering from the University of Illinois at Urbana-Champaign (UIUC), Champaign, IL, USA, in 2004 and 2005, respectively. From 1997 to 2000, he was an Officer (First Lieutenant) and an Academic full-time Instructor in the Department of Electronics Engineering, Korean Air Force Academy. From 2005 to 2007, he was a Staff Engineer with Qualcomm Inc., San Diego, CA, USA. From 2007 to 2014, he was an Associate Professor with the School of Information and Communication, Korea University, Seoul. Since 2014, he has been with Seoul National University (SNU), where he is currently a Professor of the Department of Electrical and Computer Engineering and Vice Dean of the College of Engineering. His research interests include wireless communications, statistical signal processing, and deep learning. He was a recipient of the M. E. Van Valkenburg Research Award from the ECE Department, University of Illinois, in 2005, the Hadong Young Engineer Award from IEIE in 2010, the Irwin Jacobs Award from Qualcomm and KICS in 2016, the Shinyang Research Award from the Engineering College of SNU in 2017, the Okawa Foundation Research Award in 2020, the IEEE Comsoc AP Outstanding Paper Award in 2021, and the JCN Best Paper Award in 2024. He was an Elected Member of the Signal Processing for Communications and Networking (SPCOM) Technical Committee of the IEEE Signal Processing Society. He has been served as an Associate Editor for IEEE Transactions on Wireless Communications (TWC), IEEE Transactions on Communications (TCOM), IEEE Transactions on Vehicular Technology (TVT), IEEE Transactions on Signal Processing (TSP), IEEE Wireless Communications Letters (WCL), and Journal of Communications and Networks (JCN) and also a Guest Editor for IEEE Journal on Selected Areas in Communications (JSAC).